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Description

TECHNICAL FIELD

[0001] The present invention relates to ultrasound
transmission and reception utilizing, for example, ultra-
sound measurement and imaging in the field of medi-
cine and the field of ultrasound measurement. In partic-
ular, it is related to ultrasound transmission and recep-
tion using pulse compression.

BACKGROUND ART

[0002] Conventionally, measurement has been per-
formed and images obtained utilizing reflected ultra-
sound waves and the like. For example, with an ultra-
sound diagnosis apparatus, a tomogram of an organism
is obtained by transmitting an impulse wave from an ul-
trasonic transducer, receiving back the reflected echo,
and then being subjected to image processing. For such
an ultrasound diagnosis apparatus, the deepest inva-
sion depth and highest resolution possible is required.
[0003] There is a pulse compression technique that
satisfies this requirement. With this, an originally long
pulse is shortened and compressed by subjecting an ul-
trasonic signal that is to be transmitted to FM modulation
(hereafter the resulting signal is referred to as a chirp
signal) and upon reception, passing it through a filter
corresponding to the chirp signal. An attempt is made
to increase resolution due to the compression, and at
the same time improve the signal-to-noise ratio, and im-
prove the invasion depth.
[0004] With such pulse compression, since the trans-
mitted signal and the received signal are temporally sep-
arate, it is necessary to separate the transducer from
measurement subject. The region in between is called
the separation region. For example, with an ultrasound
microscope, the separation region is configured by a line
that has a sufficiently large diameter in comparison to
the signal wavelength and that is used as a delay me-
dium. This line cannot be regarded as a waveguide be-
cause it may not be flexible due to the fact that it is al-
lowed to have an infinitely large diameter. Here the
waveguide is said to have no change in amplitude dis-
tribution within cross sections within the entire propa-
gated distance. In this case, transmission/reception of
a pulse having a long duration of 100 µs or longer using
the 20Mhz band is practically difficult. In addition, since
this line has no flexibility, it cannot be adapted for ultra-
sound endoscopes, etc. As a method in place of this,
there is a method that uses separate probes for trans-
mission and reception. In addition, a circulator is used
with a 25Mhz or higher band. However, a reflection oc-
curring due to mismatch between the transducer and the
transmission medium is additionally mixed into the re-
ception system.
[0005] Pulse compression is widely used with the ob-
jective of attempting to increase transmission energy

under the limitation of transmission peak-power in the
field of radar and sonar in order to increase survey dis-
tance and/or gain higher resolution. Much research on
introducing the pulse compression technique with simi-
lar objectives is also being carried out in the field, of
medical ultrasound. Notwithstanding benefits such as
being able to improve resolution in a predetermined re-
gion in order to allow manipulation of the transmission
signal spectrum in the time domain, this pulse compres-
sion technique has yet to reach realization in the field of
medical ultrasound.
[0006] The biggest hurdle to bringing this into use is
the need for a separation region, and the next hurdle is
suppression of the side lobes after pulse compression.
The problem with the latter is that due to the signal of a
small reflective body becoming buried by the side lobes
of a signal from a large reflective body.
[0007] Speaking of the separation region problem,
with the pulse compression technique, the long pulse
width of the transmitted pulse signal, which is hundreds
of micro seconds long, causes separation to become
great. A soft plastic board is ordinarily used to provide
this region. In actuality, this method is very difficult to
deal with. In addition, this method is not applicable to
ultrasound endoscopes, etc. Another way of avoiding
this method is using separate proves for transmission
and reception. However when separate probes for
transmission and reception are used, only a signal from
the region where the transmitted ultrasound beam inter-
sects the region where the reception transducer can re-
ceive, and the obtained image is poor. Furthermore, for
reception of a mixed transmission signal and reception
signal it is not practical because it requires an amplifier
with extremely large dynamic range. Accordingly, a
method of separating a transmission signal and a recep-
tion signal with an integrated transmission/reception
probe is desirable.
[0008] From Tadashi Moriya et al., in IEEE Ultrasonics
Symposium, Vol. 2, 1998, pages 1389 - 1392 an ultra-
sound apparatus can be taken. The apparatus serves
for the measurement of complex acoustic impedance.
A solid transmission line is composed of a fused quartz
rod polished at one end and with an ultrasonic transduc-
er at the other end. A liquid layer acts as a variable trans-
mission line between the solid transmission line and the
sample. An important characteristic of the liquid layer is
that the length of the line is variable. The interface be-
tween the solid line and the liquid functions as a refer-
ence reflector.

DISCLOSURE OF THE INVENTION

[0009] The object of the present invention is to solve
the following problems occurring in conventional ultra-
sound transmission and reception.

1. In pulse compression, a transmission signal and
a reception signal having long duration cannot be
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temporally separated by a single transducer.
2. After compression, side lobe level suppression is
insufficient.

[0010] Once these items are developed, various ap-
plications such as detection of an extremely weak signal
and Doppler measurement will become possible.
[0011] In order to achieve the above-mentioned ob-
ject, an ultrasound apparatus according to claim 1 is pro-
vided. In particular, the apparatus may perform pulse
compression on a received ultrasound signal using a
signal with temporally changing frequency as an ultra-
sound signal to be transmitted, is characterized by a
transducer common for receiving and transmitting said
ultrasound signal and a transmission line common for
propagating said ultrasound signal, wherein a flexible
waveguide transmission line is used as said transmis-
sion path, and said transmission line is used as a delay
medium to temporally separate a received ultrasound
signal and a transmitted ultrasound signal with long du-
ration. A quartz rod where the center portion is made
narrow can be used as this transmission line.
[0012] Preferred developments of the invention are
defined in the dependent claims
[0013] For said ultrasound signal to be transmitted, a
signal where frequency changes but not dependent on
time may be used. In this case, said signal to be trans-
mitted may be a signal that becomes a signal where fre-
quency changes in proportion to time when received.
When the transmission line is long, a chirp signal with a
changing frequency becomes distorted; however, by us-
ing a non-linear chirp signal where frequency changes
but not in proportion to time, it becomes possible to re-
duce the distortion in the received signal.
[0014] Side lobe suppression can be performed after
pulse compression of a received ultrasound signal, by
taking the correlation with an ideal compression wave-
form during further compression.
[0015] By coding a plurality of ultrasound signals de-
layed a certain length of time in conformity with whether
or not being sent according to a code series, and trans-
mitting them, and after pulse compressing the received
signals, they may be decoded in conformity with the
code series that has been coded. In this manner, by
transmitting a plurality of signals in accordance with the
code series, two-step compression processing be-
comes possible, and a reception signal with an even
higher S/N ratio can be obtained.
[0016] By using an up chirp signal and a down chirp
signal as the ultrasound signal to be transmitted, and
performing analysis of the time difference or spectrum
of, for example, the compressed pulses obtained
through processing said respective signals received, it
is possible to accurately measure the Doppler effect.
[0017] In addition, the above mentioned transmission/
reception configuration can be applied to configure an
interluminary system.

BRIEF DESCRIPTION OF DRAWINGS

[0018]

Fig. 1 is a graph showing dispersion characteristics
of elastic waves transmitted through a fused quartz
rod.
Fig. 2 is a diagram for describing separation of a
transmission signal and a reception signal using a
quartz rod.
Fig. 3 is a diagram describing use of a non-linear
chirp signal.
Fig. 4 is a diagram for describing side lobe suppres-
sion.
Fig. 5 is a diagram describing simulation of side lobe
suppression.
Fig. 6 is a diagram describing two-step pulse com-
pression.
Fig. 7 is a diagram describing configuration of an
intraluminal system.
Fig. 8 is a diagram describing the Doppler effect on
an up chirp signal.
Fig. 9 is a diagram describing the pulse compres-
sion processing of an up chirp signal.
Fig. 10 is a diagram describing the result of pulse
compression processing.
Fig. 11 is a diagram describing the Doppler effect
on a down chirp signal.
Fig. 12 is a diagram describing the pulse compres-
sion processing on a down chirp signal.
Fig. 13 is a diagram describing the result of pulse
compression processing.
Fig. 14 is a diagram describing measurement of the
Doppler effect.
Fig. 15 is a measurement example of Doppler fre-
quency at the temporal intervals of compressed
pulses.
Fig. 16 is a measurement example of Doppler fre-
quency through spectral comparison.
Fig. 17 is a diagram describing another configura-
tion of the intraluminal system.
Fig. 18 is a diagram of waveform observation re-
sults from the use of the another configuration of
the intraluminal system.

BEST MODE FOR CARRYING OUT THE INVENTION

[0019] The best mode for carrying out the invention is
described in detail forthwith while referencing the draw-
ings.

[TEMPORAL SEPARATION OF TRANSMISSION
SIGNAL AND RECEPTION SIGNAL]

[0020] To begin with, temporal separation of a trans-
mission signal and a reception signal is described.
[0021] In the present invention, the separation region
for performing temporal separation is configured using
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a flexible waveguide transmission line.
[0022] As shown in Fig. 1, the propagation features of
the L (0,1) mode, the L (0,2) mode, and the L (0,3) mode
of an elastic wave propagated through fused quartz rod
are clearly shown (refer to IEICE Trans. Commun., Vol.
J69-A, No. 8, pp. 1006 - 1014, 1986 and IEICE Trans.
Commun., Vol. 109-C, No. 8, 1989, pp. 581 - 586). It is
noted that, L (0,1) mode, L (0,2) mode, and L (0,3) mode
correspond to waves that, among the elastic waves
transmitted through a cylindrical elastic rod, are longitu-
dinal waves and do not change towards the circumfer-
ence. These are referred to as L (0,1) mode, L (0,2)
mode, and L (0,3) mode, in order from the simplest
mode, and are distinguishable because propagation
time differs for each.
[0023] Nevertheless, since the objective has been to
form a pulse compression filter using a region (region B
and region D in Fig. 1) having large dispersion (or the
difference in propagation time due to frequency), trans-
mitting a chirp signal through a region having small dis-
persion was not considered. It is understood that there
is small dispersion and a high conversion efficiency from
an electric signal to an ultrasound signal in regions A, C
and E (refer to Japanese Journal of Applied Physics,
Vol. 27, Supplement 27-1, pp.117-119, 1988). In the
present invention, transmission of a signal where the
frequency thereof climbs over time (up chirp signal) or
a signal where the frequency thereof decreases over
time (down chirp signal) through a fused quartz rod us-
ing as wide a range as possible is considered.
[0024] Here, a method for configuring a flexible trans-
mission line using the region E of L (0,3) mode of a
quartz rod is discussed. To begin with, in order to oscil-
late ultrasonic waves having a frequency of 20MHz us-
ing the E region of L (0,3) mode, it is necessary to use
quartz rod with a diameter of approximately 0.5mm.
Moreover, in order to transmit plane waves without ex-
panding the ultrasound beam within a specimen that is
to be measured (preferably, the ultrasound wave con-
verging within the specimen), a transmission line having
a sufficiently wide cross-sectional area compared to
wavelength (since wavelength of an ultrasound wave
within an organism at 20Mhz is approximately 75 µm, a
circular end surface with a diameter of approximately
0.75mm, which is ten times larger) must be used. On
the other hand, in order to preserve flexibility, a trans-
mission line that is as thin as possible must be used.
Accordingly, with the present invention, a taper-shaped
quartz rod, which is thick at both ends and gradually be-
comes thin at the center is used.

[TAPER-SHAPED QUARTZ ROD]

[0025] In the case of using a taper-shaped quartz rod,
since portion of the C region and the D region are used,
testing must be performed to find approximately to what
ratio of end surface and center portion is allowed. As
shown in Fig. 2(a), with the present invention, results of

actual testing on each type of taper-shaped quartz rod
require the use of fused quartz rod 20 with the diameter
of the side connected to an ultrasound probe being ap-
proximately 0.58mm, the diameter of the smallest por-
tion being 0.3mm, the diameter of the end face being
0.68mm, and the length of the rod being 38mm. This
shows that the diameter of the side of fused quartz rod
20 to which ultrasound transducer 10 is attached is set
so as to fall within a favorable range of conversion effi-
ciency in L (0,3) mode; in addition, the diameter of quartz
rod 20 on the side which comes into contact with spec-
imen 50 is set large enough compared to wavelength,
and the rest of the portions are set thin enough to pre-
serve flexibility.
[0026] In this case, it is confirmed that ultrasound
waves can be transmitted at between 18Mhz and 21Mhz
with little waveform distortion and under little influence
from other modes. The transmission waveform and the
reception waveform are shown in Fig. 2(b). In addition,
favorable operation between 29Mhz and 33Mhz is also
confirmed.

[NON-LINEAR CHIRP SIGNAL]

[0027] Since there is dispersion even in the region de-
scribed above within quartz rod 20, when the distance
needed to form the separation region becomes approx-
imately 1 meter, the waveform becomes distorted. Thus,
compensation becomes necessary. In the present in-
vention, the fact that the waveform of the chirp signal is
easily controlled in time-domain is utilized, and config-
uration is made so that the transmission chirp signal is
made a non-linear chirp signal (a signal for which fre-
quency does not vary in proportion to time], and its char-
acteristics are configured so that the waveform after re-
ception can be a linear chirp signal (a signal for which
frequency varies in proportion to time]. This is described
with Fig. 3.
[0028] In Fig. 3(a), the signal generated by signal gen-
erator 30 is made a non-linear chirp signal as described
above, and this non-linear chirp signal is applied to
fused quartz rod 20 from transducer 10 as a transmis-
sion signal. The non-linear chirp signal propagates
through fused quartz rod 20, is reflected at the specimen
50, propagates again through the same fused quartz rod
20, and is received by transducer 10. This reception sig-
nal is a linear chirp signal. The waveform of the trans-
mission signal as a non-linear chirp signal, and the re-
ception signal as a linear chirp signal are shown with
Fig. 3(b) (1) and (2), respectively. How to find the trans-
mission signal as a non-linear chirp signal is described
in detail later.
[0029] This makes it possible to transmit both an up
chirp signal and down chirp signal through the same
transmission line, and makes it easy to perform signal
processing such as removing the effect of frequency de-
pendence decay within an organism or Doppler signal
detection. It is noted that since L (0,3) mode propagation
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time, as can be seen in Fig. 1, is approximately 100 µs
per meter, it is necessary to adjust the length of the prop-
agation line in conformity with the pulse width of the
transmitted signal.

[HOW TO FIND THE NON-LINEAR CHIRP SIGNAL]

[0030] As an example of how to find the non-linear sig-
nal, the E region in the L (0,3) mode of an elastic wave
[Pochhammer-Chree waves] propagating through the
fused quartz rod is used; one end of the fused quartz
rod is attached to the transducer; the other end is used
as a coupler to a subject to be observed; a non-linear
frequency modulated signal, which compensates dis-
persion in the elastic wave, is used as a transmission
signal; and the reception signal is made a linear chirp
signal.
[0031] In this case, let H (ω) be the transfer function
for the transmission line, and C (ω) be the Fourier trans-
form of the linear chirp signal; the transmission non-lin-
ear chirp signal can be found from the reverse Fourier
transform of C (ω) / (H (ω) + κ). Here, κ is determined
using a criterion such as the minimal square error be-
tween the ideal chirp signal and the planned chirp signal.

[SIDE LOBE SUPPRESSION]

[0032] For example, in a medical ultrasound imaging
apparatus, it is necessary to detect a small reuective
body that is near a large reflective body. As a result, side
lobe suppression of the reflective wave is the biggest
problem in pulse compression attempting to increase
resolution. In order to suppress side lobes with the
present invention, as shown in Fig. 4, the waveform of
the received chirp signal from the specimen is com-
pressed by pulse compression filter 41, and is then cor-
related to the ideal compressed waveform, which is of
pulse compression filter 41 and which is output from
waveform generator 43. By calculating a cross-correla-
tion, since the output of the cross correlation between
two similar waves is high when they match, this can be
used to suppress side lobes.
[0033] Fig. 5(a) is a waveform diagram of the output
of the received chirp signal from pulse suppression filter
41; and Fig. 5(b) is a waveform chart of the output from
correlation processing unit 42. From these waveform
charts, it is clear that the side lobes are suppressed.

[TWO-STEP COMPRESSION METHOD]

[0034] This method can be made applicable for an en-
coding method using an M-series (a time series of ran-
dom pulses) by adjusting so that a non-linear chirp sig-
nal corresponding to an M-series is transmitted and re-
ceived and pulse compressed to obtain a match for the
M-series. According to this method, separation of the
reception signal from the transmission signal and mul-
tiplexing of M-series is possible. In addition, since the

overall compression ratio with this method is the product
of the compression ratio of the chirp signal and the com-
pression ratio of the M-series, a large compression ratio
can be obtained.
[0035] This is described in more detail using Fig. 6.
Generation of a signal is shown in section A of Fig. 6. In
other words, a plurality of chirp signals, each delayed a
certain fixed length of time, are generated, and in re-
sponse to a M-series of codes, for example 1, 1, 0, ...,
the temporally delayed chirp signals are sent out, re-
spectitively. A chirp signal is sent out when the M-series
is "1", and no signal is sent out when "0"; then after this
plurality of signals conforming to the M-series are com-
bined through synthesizer 32, they are transmitted from
transmitter 33. After receptor 46 receives the signal from
the specimen, compression of the chirp signal is first
performed by pulse compression filter 47, and a pulse
string corresponding to the M-series is generated. Next,
a signal matching the same M-series at the time of trans-
mission is decoded by decoder 48, obtaining a single
short pulse. In this manner, since compression with a
two-step compression comprising compression in con-
formity with the chirp signal and compression in con-
formity with the M-series is carried out, observation with
a high signal-to-noise ratio is possible.
[0036] It is noted that it is possible to apply the above-
mentioned side lobe suppression to this two-step com-
pression processing, and perform side lobe suppression
after processing by the pulse compression filter.
[0037] This two-step pulse compression can also be
applied to radar, sonar, and spread-spectrum commu-
nication.

[INTRALUMINAL ULTRASOUND ENDOSCOPE
SYSTEM]

[0038] An example of applying the present invention
to an intraluminal ultrasound endoscope is described
forthwith using Fig. 7. An ultrasound endoscope of a
system where the object to be viewed is a lumen such
as inside a blood vessel or inside the uterer, and where
a probe mechanically rotates, is used with ultrasound
transducer 10 built into the catheter. It is easy to intro-
duce pulse compression to this system by using a meth-
od of separating the transmitted signal and the reception
signal according to the present invention.
[0039] This is shown in Fig. 7. More specifically, since
an L (0,3) mode elastic wave in the 20Mhz band prop-
agates through a quartz rod having a diameter between
approximately 0.3 mm and approximately 0.7 mm, it is
possible to insert the quartz rod into a hollow metal line
by employing appropriate protection such as winding
with silk thread. Since quartz rod 20 having such thick-
ness is flexible, it can be used inserted into a catheter.
The diameter of the coupler portion is set to accommo-
date the measurement depth by using a taper-shaped
quartz rod. Moreover, the acoustically matching portion
(matching layer) 22, the refractive surface, and lens (in
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this example, focusing lens-attached reflector 24) for
acoustic beam are positioned. This lens can be set near
the specimen to be observed. The ultrasound wave ex-
cited through ultrasonic transducer 10 irradiates the
subject region through fused quartz rod 20 and the cou-
pler, and the reflected signal propagates back through
quartz rod 20 and is converted to an electric signal again
by transducer 10. By setting the transmission signal so
the received signal can be a linear chirp signal, the re-
ceived signal is converted to a compressed pulse
through standardized signal processing using signal
processing unit 44 after passing through a standardized
pulse compression filter or A/D converter. This can be
observed with display unit 45.
[0040] With this system it is possible to use a non-
linear chirp signal as the transmission signal and per-
form side lobe suppression using an ideal output wave-
form of the above-mentioned pulse compression filter
as the reception signal processing.
[0041] In addition, it is possible to use the above-men-
tioned two-step pulse compression processing.

[DOPPLER SIGNAL MEASUREMENT]

[0042] When linear chirp signal is applied a Doppler
shift, it is known that the spectrum is frequency shifted
without having less change in the shape of compressed
signal waveform. Here, it is described that the up chirp
signal and the down chirp signal are transmitted simul-
taneously through the transmission line described
above, that the fact that spectrum of the signals reflected
from the same region shift opposite directions is used,
and that the detection of the Doppler signal is done by
comparing these spectrums. It is possible to detect mo-
tion velocity within a wide region by changing the rate
of frequency change in the transmission chirp signal.
[0043] To begin with, Doppler shift of an up chirp sig-
nal and a down chirp signal is described in detail using
Fig. 8 through Fig. 13.
[0044] Fig. 8 through Fig 10 describe temporal shift of
a waveform after compression depending on whether
the Doppler effect is present in the case of an up chirp
signal.
[0045] A case where there is no Doppler effect is first
considered. Fig. 8(a) schematically shows a linear fre-
quency modulated chirp signal, which is a chirp signal
of pulse width T and the frequency of which showing a
linear increase from f1 to f2 = f1 + ∆t. This waveform is
input to the pulse compression filter, which has the char-
acteristics of Fig. 9(a). In this filter, the low frequency
band yields greater time delay and as frequency be-
comes higher, time delay decreases linearly. It is to be
assumed that where the frequency is f1, the time delay
is t2, and where the frequency is f2, the time delay is t1
= t2 - T. Once the up chirp signal is input to this filter, the
signal input earlier in time progresses slowly, whereas
a high signal moves more quickly, thus the chirp signal
after passing through the filer, is compressed creating

a waveform such as that shown in Fig 10(a). At this
point, time delay from an arbitrary standard time is as-
sumed to be T0.
[0046] Next, a case where there is Doppler effect is
considered. It is to be assumed that the chirp signal
shown in Fig. 8(a) is applied a frequency shift (Doppler
shift) in conformity with the Doppler effect shown in Fig.
8(b) to become a chirp signal that has changed from f1
+ fd to f2 + fd. Here fd denotes the Doppler frequency
representing the frequency shift of the Doppler effect,
and is assumed to be positive. The case where the chirp
signal applied this frequency shift is input to a pulse
compression filter with the same features as shown in
Fig. 9(a) is shown in Fig 9(b). As shown in this figure,
the time delay corresponding to frequency f1 + fd is small
with t2 - hd. Here, hd = T · fd / ∆f. Accordingly, the delay
of the compressed waveform also is small, and after
passing through the filter, the chirp signal takes on a
waveform such as shown in Fig. 10(b), and the delay
from the reference time is T0 -hd.
[0047] Next, the case of a down chirp signal is con-
sidered. Fig. 11 through Fig. 13 describe the misalign-
ment of the waveform after compression in conformity
with whether the Doppler effect is present, in the case
of an up chirp signal.
[0048] First, the case without the Doppler effect is
considered. Fig. 11(a) shows a chirp signal whose fre-
quency shows linear reduction from f2 to f1 = f1 - ∆f.
When this signal is input to the pulse compression filter
with the features shown in Fig. 12(a), given that in this
filter, time delay is greater for f2, and time delay is small-
er for f1 = f1 - ∆f, since the high frequency components
input to the filter first proceed slowly, and the low fre-
quency components input later proceed faster, a com-
pressed waveform such as the one shown in Fig. 10(a)
is obtained. Here, time delay from the standard time is
set as T0.
[0049] Next, the case with the Doppler effect is con-
sidered. It is assumed that the chirp signal shown in Fig.
11(a), after being affected by the frequency shift of the
Doppler effect, has become the chirp signal which shift
from f2 + hd to f1 + hd = f2 - f1 + ∆f. When these signal
is input to a pulse compression filter with the same fea-
tures as shown in Fig. 12(a), since frequencies as a
whole have been on the rise, time delay of the com-
pressed waveform from the standard time becomes To
+ hd.
[0050] As shown in Fig. 10 and Fig. 12, after being
compressed, since the signals of the up chirp signals
and the down chirp signals respectively shift in opposite
directions due to the Doppler effect, detection of this
shift makes it possible to detect the Doppler signal itself.
[0051] Next, how to determine if the Doppler effect is
detected is described. Let the Fourier transform of the
compressed waveform of the up chirp signal shown in
Fig. 10(a) be FU(ω). With the signal having the Doppler
effect shown in Fig. 10(b), since the signal temporally
shifts hd without any change in waveform, the Fourier
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transform of this waveform becomes FU(ω)ejωhd. Simi-
larly, if it is assumed that the Fourier transform of the
waveform of the down chirp signal in Fig.13(a) is FD(ω),
the Fourier transform of the waveform of the signal with
the Doppler effect shown in Fig. 13 (b) becomes FD (ω)
ejωhd.
[0052] Accordingly, in the case where there is no Dop-
pler effect, for example, if the system is adjusted so as
to have FU(ω) = FD(ω), from the measurement values of
FU(ω) ej ωhd and FD(ω) ejωhd, it is possible to obtain hd
= T · fd · ∆f, or in other words the Doppler frequency fd.
[0053] It is noted that, in this description, the case
where the Doppler signal increases is considered; how-
ever, in the case where the signal decreases, the prin-
ciple remains the same only the direction of the shift
takes place in the opposite direction.
[0054] An apparatus, which applies this principle to
detect the Doppler frequency, is shown in Fig. 14.
[0055] In Fig. 14, up chirp signal I and down chirp sig-
nal 2 are synthesized at synthesizer 6 and then trans-
mitted. As for the signals transmitted to the specimen
through a transmission line according to the present in-
vention, signal 1, after being received, is compressed
by up chirp signal pulse compression system 64, and at
gate circuit 1 66, the signal of the target location is
picked up. Down chirp signal 2 is also compressed by
down chirp pulse compression system 65, and at gate
circuit 2 67, the signal of the target location described
earlier is picked up.
[0056] In the case where Doppler measurement is
performed together with compressed pulse target loca-
tion detection, the signal of the respective target loca-
tions from gate circuit 1 66 and gate circuit 2 67 is trans-
mitted to the time comparison circuit (not shown in the
drawings). Using the time comparison circuit, measure-
ment of the Doppler effect at the respective target loca-
tions is performed using the time difference of up chirp
signal 1 and down chirp signal 2, respectively. This is
described in detail later.
[0057] In the case of spectral Doppler frequency de-
tection, the pulse that is the output of the gate circuit 1
66, and the pulse that is the output of the gate circuit 2
67 are respectively convoluted at convolution unit 1 68
and convolution unit 2 69 with the standard chirp signal
(up chirp signal 1 or down chirp signal 2) from the stand-
ard chirp signal generator. As a result, since chirp sig-
nals having a time difference are obtained, spectrum
analysis is performed after these signals are input to
mixer 71 and multiplied. Picking up lower frequency
components, the beat of two chirp signals having a time
difference is obtained. Thus, the Doppler frequency at
the target position can be obtained. It is noted that by
matching the characteristics of the gate circuit 1 66 and
the gate circuit 2 67, the influence from the window func-
tion can be reduced to a minimum.
[0058] This spectrum analysis will be described in de-
tail later.
[0059] Transmission of a signal for measuring the

Doppler effect can be performed using the quartz rod
shown in Fig. 2; however, the present invention is not
limited to this.
[0060] Transmission and reception of these signals
can use the non-linear chirp signal described above,
and for suppression of side lobes, side lobe suppression
processing using ideal output waveforms of the pulse
compression described above can also be performed.
[0061] When this method is applied, for example, to
detect the velocity of blood flow in an organism, addi-
tional use of a low-density ultrasound contrast agent
(tracer) can assure a more accurate detection of blood.
In addition, since blood flow observation can be per-
formed at the same time as localization, velocity distri-
bution of blood flow can be found.
[0062] In Fig. 15 examples of Doppler frequency
measurement depending on comparison of the time in-
terval between gate circuit 1 and gate circuit 2 in Fig. 14
is shown. Here the center frequency of the transmitting
chirp signal is shifted ahead of time, and using as refer-
ence the intervals at the time when there is no Doppler
effect, an increase/decrease in the Doppler effect and
an increase/decrease in the pulse interval are harmo-
nized. Namely, compared to intervals without the Dop-
pler effect shown in Fig. 15(b), if the Doppler effect is
positive as shown in Fig. 15(a), the intervals between
pulses widen; if the Doppler effect is negative, as shown
in Fig. 15(b), the intervals between pulses narrow. By
detecting this difference, the Doppler effect at the sub-
ject location can be measured.
[0063] In Fig. 16, a measurement example of the Dop-
pler frequency by spectrum analysis is shown. Here the
center frequency of the transmitting chirp signal is shift-
ed in advance, and using as a reference the intervals in
the case without the Doppler effect, the increase and
decrease of the Doppler effect and the shift of spectrum
are corresponded. In short, when there is no Doppler
effect, as shown in Fig. 16(b), the center of spectrum is
assumed to be 10khz. If the Doppler effect is positive,
as shown in Fig. 16(a), the center of the spectrum shifts
to the low frequency side; if the Doppler effect is nega-
tive, the center of spectrum shifts to the high frequency
side. By detecting this, frequency shift due to the Dop-
pler effect (the Doppler frequency) can be detected.

[OTHER INTRALUMINAL SYSTEMS]

[0064] Other example of the present invention being
applied to an intraluminal system is described using Fig.
17.
[0065] An ultrasound endoscope of a system where
the object to be viewed is a lumen such as inside a blood
vessel or inside the uterer, and where a probe mechan-
ically rotates, is used with an ultrasound transducer 10
built into the catheter. This is the same as the system
used in Fig. 7. Since it is desirable that the transmission
line of this system have better flexibility, it is configured
using the L(0,1) mode.
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[0066] This is shown in Fig. 17. In other words, the L
(0,1) mode elastic wave in the 20Mhz band is transmit-
ted through a quartz rod with a diameter of approximate-
ly 125 u m. In this experiment, a dielectric line (Stycast
2651 mm) with a diameter of 150 µm and a length of 37
µm is used as matching layer 22 (a matching transmis-
sion line) and is attached to the end of fused quartz rod
20 having a diameter of 125 µm and a length of 60 cm.
The matching layer acts as a coupler between the trans-
mission line and water. This matching layer-attached
transmission line is inserted into a metal tube and sub-
jected to a waterproofing process. It is carefully consid-
ered that a portion of the rotating ellipsoid body be used
as converging lens 24, and the edge of the transmission
line is located on the focal point of the lens. In addition,
in this case, since it is necessary to excite a large am-
plitude ultrasound wave in a narrow line, the ultrasound
wave excited by transducer 10 is transmitted and re-
ceived by the fused quartz rod via ultrasound paraboloid
mirror 11. This lens can be set near the specimen to be
measured. The ultrasound wave excited by transducer
10 irradiates target region 55 through fused quartz rod
20 and the coupler; the reflected wave then propagates
in reverse through quartz rod 20 and is converted back
to an electric signal by transducer 10. When the trans-
mitted signal is set so that the received signal becomes
a linear chirp signal, the received signal is converted to
a compressed pulse by a standardized digital signal
processing by signal processing unit 44 after passing
through a standardized pulse compression filter or an
A/D converter. This can be observed with displaying ap-
paratus 45. An example of the observed waveform is
shown in Fig. 18.
[0067] Fig. 18(a) is an example where a reflection
from an aluminum plate in water is observed. After re-
flection A from the transmission end surface, reflected
waveform B from the aluminum plate in water can be
clearly observed. Fig. 18(b) is an example where a re-
flection from an acrylic plate in water is observed; and
Fig. 18(c) is an example where an optical fiber having a
diameter of 125 µm is observed in water. In both exam-
ples, after reflected waveform A form the transmission
end surface, it is possible to observe reflected wave-
forms C and D from the target object.
[0068] In this system, it is possible to use a non-linear
chirp signal as the transmission signal, and also to per-
form side lobe suppression processing using an ideal
output waveform of the above-mentioned pulse com-
pression filter as processing of the reception signal.
[0069] In addition, the above mentioned two-step
compression processing can also be used.

Industrial Applicability

[0070] With the present invention, in ultrasound trans-
mission and reception using a chirp signal, by using a
flexible waveguide transmission line as the transmission
line, and by using said transmission line as a delay me-

dium, it is possible to temporally separate a transmis-
sion signal and a reception signal with a certain extend-
ed duration. For this transmission line, a quartz rod hav-
ing both ends tapered may be used.
[0071] When a transmission line is long, a chirp signal
tends to be distorted; however, the use of non-linear
chirp signal makes it possible to suppress distortion in
the reception signal.
[0072] Furthermore, by utilizing an ideal output wave-
form of a pulse compressed, it is possible to perform
side lobe suppression in reception signals.
[0073] By transmitting multiple chirp signals in ac-
cordance with a code line, two-step compression
processing becomes possible and reception signals can
be obtained having a higher signal-to-noise ratio.
[0074] Moreover, by using up chirp signals and down
chirp signals, it is possible to accurately measure the
Doppler effect.

Claims

1. An ultrasound apparatus comprising:

a transducer (10) for transmitting an ultrasound
signal and receiving a reflected echo signal;
a waveguide transmission line common for
propagating said transmitted and said reflected
ultrasound signals;

wherein said transmission line is a flexible
quartz rod (20) serving as a delay medium,

which temporally separates the reflected ul-
trasound signal and the transmitted ultrasound sig-
nal;

wherein the transmitted signal is a signal with
temporally changing frequency;

the apparatus further comprising a compres-
sion filter (41) for compression of said received ul-
trasound signal.

2. The ultrasound apparatus according to claim 1,
wherein said transducer (10) transmits a sig-

nal with a frequency that changes but not in propor-
tion to time which becomes a signal with frequency
that changes in proportion to time upon reception
by said transducer (10).

3. The ultrasound apparatus according to either claim
1 or claim 2, comprising:

wherein, side lobe suppression is performed
by taking the correlation between a pulse compres-
sion filter (41) for compressing an ideal waveform
and the received ultrasound signal; and

a correlation processing unit (42) for taking
the correlation between the ideally compressed
waveform and the received compressed waveform.
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4. The ultrasound apparatus according to any of claim
1 through claim 3, wherein

the ultrasound apparatus delays
a plurality of ultrasound signals a certain

length of time and transmits them in conformity to a
code series;

the apparatus comprising a receptor (46) for
receiving the signals;

a pulse compression filter (47) for compres-
sion of the received signals; and

a decoder (48) for decoding the compressed
signals in conformity with a code series that has
been coded.

5. The ultrasound transmission/reception apparatus
according to any of claim 1 through claim 4,

wherein the flexible quartz rod (20) is a ta-
pered quartz rod with a narrowed center.

6. A Doppler measurement apparatus, comprising:

an ultrasound apparatus according to any of
claim 1 through claim 5;
a receiver (63) for receiving an ultrasound sig-
nal including both a signal where frequency in-
creases with time and a signal where frequency
decreases with time;
a pulse compressor (64, 65) for compressing
pulses obtained by processing said respective
signals received; and
a time comparison circuit for detecting a Dop-
pler signal from the time difference of the com-
pressed pulses.

7. The Doppler measurement apparatus according to
claim 6, comprising:

a convolution unit (68, 69) for performing con-
volution of the compressed pulse obtained
through processing said respective signals re-
ceived and a standard chirp signal; and
a spectral analyzer (72) for performing spectral
analysis.

8. An interluminary ultrasound endoscope system,
comprising:

the ultrasound apparatus according to any one
of claim 1 through claim 5; and
a matching layer (22) on the specimen side end
of said waveguide transmission line.

Patentansprüche

1. Ultraschallgerät mit:

einem Wandler (10) zum Übertragen eines Ul-

traschallsignals und Empfangen eines reflek-
tierten Echosignals;
einer Wellenleiterübertragungsleitung, die zum
Ausbreiten des übertragenen und des reflek-
tierten Ultraschallsignals gemeinsam vorgese-
hen ist;

worin die Übertragungsleitung eine flexible
Quarzstange (20) ist, die als ein Verzögerungsme-
dium dient,

das zeitlich das reflektierte Ultraschallsignal
und das übertragene Ultraschallsignal trennt;

worin das übertragene Signal ein Signal mit
einer sich zeitlich ändernden Frequenz ist;

wobei das Gerät weiter ein Kompressionsfil-
ter (41) zum Komprimieren des empfangenen Ul-
traschallsignals aufweist.

2. Ultraschallgerät nach Anspruch 1,
bei dem der Wandler (10) ein Signal mit einer

Frequenz überträgt, die sich ändert aber nicht pro-
portional zur Zeit, das ein Signal mit einer Frequenz
wird, das sich proportional zu der Zeit nach Emp-
fangen durch den Wandler (10) ändert.

3. Ultraschallgerät nach einem der Ansprüche 1 oder
2, mit:

worin eine Seitenkeulenunterdrückung durch
Aufnehmen der Korrelation zwischen einem Puls-
kompressionsfilter (41) zum Komprimieren einer
idealen Wellenform und des empfangenen Ultra-
schallsignals durchgeführt wird; und

einer Korrelationsverarbeitungseinheit (42)
zum Übernehmen der Korrelation zwischen der ide-
al komprimierten Wellenform und der empfangenen
komprimierten Wellenform.

4. Ultraschallgerät nach einem der Ansprüche 1 bis 3,
bei dem das Ultraschallgerät verzögert

eine Mehrzahl von Ultraschallsignalen einer
bestimmten Zeitlänge und sie in Übereinstimmung
mit einer Codereihe überträgt;

das Gerät aufweist einen Empfänger (46)
zum Empfangen der Signale;

ein Pulskompressionsfilter (47) zum Kompri-
mieren der empfangene Signale; und

einen Decoder (48) zum Decodieren der kom-
primierten Signale in Übereinstimmung mit einer
Codeserie, die kodiert worden ist.

5. Ultaschallübertragungs/Empfangsgerät nach ei-
nem der Ansprüche 1 bis 4,

bei dem die flexible Quarzstange (20) eine an-
geschrägte Quarzstange mit einem verschmäler-
tem Zentrum ist.

6. Dopplermeßgerät, mit:
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einem Ultraschallgerät nach einem der Ansprü-
che 1 bis 5;
einem Empfänger (63) zum Empfangen eines
Ultraschallsignals, das sowohl ein Signal ent-
hält, bei dem die Frequenz mit der Zeit zu-
nimmt, und ein Signal, bei dem die Frequenz
mit der Zeit abnimmt;
einem Pulskompressor (64, 65) zum Kompri-
mieren von Pulsen, die durch Verarbeiten der
entsprechenden empfangenen Signale erhal-
ten sind; und
eine Zeitvergleichsschaltung zum Erfassen ei-
nes Dopplersignals von der Zeitdifferenz der
komprimierten Pulse.

7. Dopplermeßgerät nach Anspruch 6, mit:

einer Faltungseinheit (68, 69) zum Durchführen
einer Faltung des komprimierten Pulses, der
durch Verarbeiten der entsprechenden emp-
fangenen Signale erhalten ist, und eines Stan-
dardzirpsignals; und
einem Spektralanalysator (72) zum Durchfüh-
ren einer Spektralanalyse.

8. Interluminares Ultraschallendoskopsystem mit:

dem Ultraschallgerät nach einem der Ansprü-
che 1 bis 5; und
einer passenden Schicht (22) auf dem Proben-
seitenende der Wellenleiterübertragungslei-
tung.

Revendications

1. Appareil à ultrasons comprenant :

un transducteur (10) destiné à émettre un si-
gnal ultrasonore et à recevoir un signal d'un
écho réfléchi,
une ligne de transmission à guide d'onde com-
mune pour la propagation dudit signal ultraso-
nore émis et dudit signal ultrasonore réfléchi,

dans lequel ladite ligne de transmission est un
barreau de quartz flexible (20) servant de milieu à
retard,

lequel sépare dans le temps le signal ultraso-
nore réfléchi et le signal ultrasonore émis,

dans lequel le signal émis est un signal pré-
sentant une fréquence variable dans le temps,

le dispositif comprenant en outre un filtre de
compression (41) destiné à la compression dudit si-
gnal ultrasonore reçu.

2. Appareil à ultrasons selon la revendication 1,
dans lequel ledit transducteur (10) émet un si-

gnal avec une fréquence qui varie, mais non pas
proportionnellement au temps, qui devient un signal
ayant une fréquence qui varie proportionnellement
au temps, lors d'une réception par ledit transducteur
(10).

3. Appareil à ultrasons selon soit la revendication 1,
soit la revendication 2, comprenant :

une suppression des lobes latéraux qui est exé-
cutée dans celui-ci en prenant la corrélation en-
tre un filtre de compression d'impulsions (41)
pour compresser une forme d'onde idéale et le
signal ultrasonore reçu, et
une unité de traitement de corrélation (42) des-
tinée à prendre la corrélation entre la forme
d'onde compressée idéalement et la forme
d'onde compressée reçue.

4. Appareil à ultrasons selon l'une quelconque des re-
vendications 1 à 3, dans lequel

l'appareil à ultrasons retarde
une pluralité de signaux ultrasonores d'une

certaine durée et les émet conformément à une sé-
rie de code,

l'appareil comprenant un récepteur (46) des-
tiné à recevoir les signaux,

un filtre de compression d'impulsions (47)
destiné à la compression des signaux reçus, et

un décodeur (48) destiné à décoder les si-
gnaux compressés en conformité avec une série de
code qui a été codée.

5. Appareil d'émission/réception d'ultrasons selon
l'une quelconque des revendications 1 à 4,

dans lequel le barreau de quartz flexible (20)
est un barreau de quartz effilé avec un centre rétré-
ci.

6. Appareil de mesure Doppler, comprenant :

un appareil à ultrasons selon l'une quelconque
des revendications 1 à 5,
un récepteur (63) destiné à recevoir un signal
ultrasonore comprenant à la fois un signal où
une fréquence augmente par rapport au temps
et un signal où une fréquence diminue par rap-
port au temps,
une compression d'impulsions (64, 65) destiné
à compresser des impulsions obtenues en trai-
tant lesdits signaux respectifs reçus, et
un circuit de comparaison de temps destiné à
détecter un signal Doppler d'après la différence
de temps des impulsions compressées.

7. Appareil de mesure Doppler selon la revendication
6, comprenant :
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une unité de convolution (68, 69) destinée à
exécuter une convolution de l'impulsion com-
pressée obtenue grâce au traitement desdits
signaux respectifs reçus et d'un signal modulé
en fréquence standard, et
un analyseur spectral (72) destiné à exécuter
une analyse spectrale.

8. Système d'endoscopie à ultrasons inter-luminal,
comprenant :

l'appareil à ultrasons selon l'une quelconque
des revendications 1 à 5, et
une couche d'adaptation (22) à l'extrémité côté
spécimen de ladite ligne de transmission à gui-
de d'onde.
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英棒20在与试样50接触的一侧的直径与波长相比足够大，而在其它部
分，石英棒20的直径设定得足够窄以获得柔韧性。图2（b）示出了发送
和接收波形。
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