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7) ABSTRACT

A hearing aid gain determination system includes: a bio-
logical signal measurement section for measuring an elec-
troencephalogram signal; a sound group determination sec-
tion for determining a frequency of a sound group including
first, second and third sounds; a sound pressure determina-
tion section for determining sound pressures of the first to
third sounds so that the respective sound pressures are less
than a threshold and that the first to third sounds consecu-
tively decrease; an output section for presenting the first to
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third sounds at the determined frequency and sound pres-
sures; a characteristic amount extraction section for extract-
ing a characteristic amount concerning time-frequency
information of an event-related potential in a time range
after presenting the first to third sounds; a gain determina-
tion section for determining a hearing aid gain for the
frequency of the sound stimulation group against a prede-
termined criterion based on the characteristic amounts.
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1
HEARING AID GAIN DETERMINATION
SYSTEM, HEARING AID GAIN
DETERMINATION METHOD, AND
COMPUTER PROGRAM

This is a continuation of International Application No.
PCT/IP2013/002287, with an international filing date of
Apr. 2, 2013, which claims priority of Japanese Patent
Application No. 2012-098430, filed on Apr. 24, 2012, the
contents of which are hereby incorporated by reference.

BACKGROUND

1. Technical Field

The present application relates to a hearing aid fitting
technique. More specifically, it relates to a system, method,
and program for determining the sound gain of a hearing aid,
during hearing aid fitting.

2. Description of the Related Art

Hypacusia means difficulty in hearing sounds of a specific
frequency or a frequency band, for example. The frequency
or frequency band which presents hearing difficulty differs
from user to user.

A hearing aid amplifies sounds so that the user can hear
the sounds. The necessary amount of amplification differs
for each user because auditory characteristics are different
from user to user. In the present specification, “gain” means
an amount by which a sound is to amplified (amount of
gain).

Prior to beginning use of a hearing aid, fitting is con-
ducted to determine a gain for each sound frequency. In
order to perform appropriate fitting, it is necessary to accu-
rately measure the auditory characteristics of a user.

In an auditory characteristics test, a hearing threshold
level (HTL) is determined first. Next, an uncomfortable
level (UCL) is determined. The HTL and the UCL are used
for determining a dynamic range of sound pressure for
sounds to be output from a hearing aid.

It is also possible to measure UCL by using electroen-
cephalogram. For example, Thornton, A. R. et al, “The
objective estimation of loudness discomfort level using
auditory brainstem evoked responses”, Scandinavian Audi-
ology, Vol. 16, No. 4, P. 219-225, 1987 (refereed to as
Non-Patent Document 1 hereinafter), discloses that there is
correlation between a V wave latency of an auditory brain-
stem response (ABR) to a click sound and the UCL.

Currently, several fitting theories are proposed in order to
derive a gain for each frequency of a hearing aid or for each
sound pressure of an input sound. For example, in the
half-gain method, the gain of each frequency is made half of
the HTL for that frequency. Berger’s method slightly aug-
ments the amplification from 1000 Hz to 4000 Hz by taking
into consideration the frequency band of the conversational
voice. The POGO method reduces the gains at 250 Hz and
500 Hz by 10 dB and 5 dB, respectively. The NAL-R method
performs amplification so that a frequency of long-term
sound analysis of words will fall around a comfortable level.

SUMMARY

Although the construction disclosed in Non-Patent Docu-
ment 1 enables UCL estimation, it cannot directly estimate
a gain of a hearing aid for each frequency. Under the
aforementioned various fitting theories, while it is possible
to determine the gain of a hearing aid that is universally
calculated from auditory characteristics, it is impossible to
set a gain that is suitable for each user.
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2

One non-limiting, and exemplary embodiment of the
present application provides a system, method, and com-
puter program which estimates the auditory characteristics
of a user from a measured electroencephalogram, and based
on the estimated auditory characteristics, determines a hear-
ing aid gain for each frequency band such that the gain is
suitable for that user.

In one general aspect, a hearing aid gain determination
system disclosed herein comprises: a biological signal mea-
surement section for measuring an electroencephalogram
signal of a user; a sound stimulation group determination
section for determining a frequency of a sound stimulation
group including a first sound, a second sound, and a third
sound, the first to third sounds being pure tones; a sound
pressure determination section for determining sound pres-
sures of the first sound, the second sound, and the third
sound so that the respective sound pressures are equal to or
less than a predetermined threshold value and that the first
sound, the second sound, and the third sound consecutively
decrease in sound pressure in this order; an output section
for presenting the first sound, the second sound, and the third
sound to the user at the frequency and sound pressures
determined by the sound stimulation group determination
section and the sound pressure determination section; a
characteristic amount extraction section for extracting a
characteristic amount concerning time-frequency informa-
tion of an event-related potential in the electroencephalo-
gram signal in a predetermined time range beginning after a
point of presenting each of the first sound, the second sound,
and the third sound; and a gain determination section for,
based on the characteristic amounts extracted by the char-
acteristic amount extraction section, determining a hearing
aid gain for the frequency of the sound stimulation group
against a predetermined criterion.

According to the above aspect, it is possible to estimate a
hearing aid output for each frequency, given a frequency.

This general and particular aspect can be implemented as
a system, a method, a computer program or a combination
thereof.

Additional benefits and advantages of the disclosed
embodiments will be apparent from the specification and
Figures. The benefits and/or advantages may be individually
provided by the various embodiments and features of the
specification and drawings disclosure, and need not all be
provided in order to obtain one or mote of the same.

BRIEF DESCRIPTION OF THE DRAWINGS

FIGS. 1A and 1B are diagrams showing exemplary hear-
ing aid outputs under a 90 dBSPL input, as exemplary results
of a hearing aid characteristics measuring experiment con-
ducted by the inventors.

FIGS. 2A and 2B are diagrams showing exemplary sound
stimulations used in an electroencephalographic experiment
conducted by the inventors.

FIGS. 3A and 3B are diagrams showing electrode posi-
tions according to the International 10-20 system, and elec-
trode positions in an electroencephalographic experiment
conducted by the inventors.

FIGS. 4A and 4B show graphs showing exemplary char-
acteristic data of event-related potential in an electroen-
cephalographic experiment conducted by the inventors.

FIG. 5 shows graphs showing exemplary arithmetic mean
waveforms and wavelet coeflicients for different frequen-
cies, in Electroencephalogram measurement experiment 1
conducted by the inventors.
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FIGS. 6A and 6B are graphs showing fluctuations in
hearing aid outputs for a 90 dBSPL input and a 80 dBSPL
input obtained in a hearing aid characteristics measuring
experiment and results of hearing aid output estimation as
estimated from Electroencephalogram measurement experi-
ment 1.

FIG. 7 shows graphs showing exemplary occurrence
frequencies of wavelet coeflicients used in the upper 1%
exhibiting least average errors, in the hearing aid output
estimation of Electroencephalogram measurement experi-
ment 1.

FIG. 8 is a diagram showing the construction of an
implementation of a hearing aid gain determination system
according to Embodiment 1.

FIG. 9 is a diagram showing an exemplary environment
of use for the hearing aid gain determination system.

FIG. 10 is a diagram showing an exemplary hardware
construction according to Embodiment 1.

FIG. 11 is a flowchart showing exemplary overall pro-
cessing by the hearing aid gain determination system in
outline.

FIG. 12 is a diagram showing a variant of the construction
according to Embodiment 1.

FIG. 13 shows graphs showing exemplary arithmetic
mean waveforms and wavelet coefficients for different fre-
quencies, in Electroencephalogram measurement experi-
ment 2 conducted by the inventors.

FIGS. 14A and 14B are graphs showing fluctuations in
hearing aid outputs for a 90 dBSPL input and a 80 dBSPL
input obtained in a hearing aid characteristics measuring
experiment and results of hearing aid output estimation as
estimated from Electroencephalogram measurement experi-
ment 2.

FIG. 15 shows graphs showing exemplary occurrence
frequencies of wavelet coeflicients used in the upper 1%
exhibiting least average errors, in the hearing aid output
estimation of Electroencephalogram measurement experi-
ment 2.

DETAILED DESCRIPTION

A first embodiment according to the present disclosure is
a hearing aid gain determination system comprising: a
biological signal measurement section configured to mea-
sure an electroencephalogram signal of a user; a sound
stimulation group determination section configured to deter-
mine a frequency of a sound stimulation group including a
first sound, a second sound, and a third sound, the first to
third sounds being pure tones; a sound pressure determina-
tion section configured to determine sound pressures of the
first sound, the second sound, and the third sound so that the
respective sound pressures are equal to or less than a
predetermined threshold value and that the first sound, the
second sound, and the third sound consecutively decrease in
sound pressure in this order; an output section configured to
present the first sound, the second sound, and the third sound
to the user at the frequency and sound pressures determined
by the sound stimulation group determination section and
the sound pressure determination section; a characteristic
amount extraction section configured to extract a character-
istic amount concerning time-frequency information of an
event-related potential in the electroencephalogram signal in
a predetermined time range beginning after a point of
presenting each of the first sound, the second sound, and the
third sound; and a gain determination section configured to
determine a hearing aid gain for the frequency of the sound
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stimulation group against a predetermined criterion based on
the characteristic amounts extracted by the characteristic
amount extraction section.

In a second embodiment according to the present disclo-
sure, the gain determination section determines a hearing aid
output under an input sound pressure of 80 dBSPL or more
against a predetermined criterion which previously defines
associations between the characteristic amounts and hearing
aid output values which are set under an input sound
pressure of 80 dBSPL or more.

In a third embodiment according to the present disclosure,
the gain determination section determines a hearing aid
output under an input sound pressure having a 90 dBSPL or
80 dBSPL against a predetermined criterion which previ-
ously defines associations between the characteristic
amounts and hearing aid output values under a 90 dBSPL
input or a 80 dBSPL input.

In a fourth embodiment according to the present disclo-
sure, the predetermined threshold value is a sound pressure
lower than a generic UCL value.

In a fifth embodiment according to the present disclosure,
the sound pressure determination section determines the
sound pressures of the first sound, the second sound, and the
third sound so that the first sound, the second sound, and the
third sound consecutively decrease in sound pressure in this
order by every 5 dB.

In a sixth embodiment according to the present disclosure,
the sound pressure determination section determines the
sound pressures of the first sound, the second sound, and the
third sound so that the first sound, the second sound, and the
third sound consecutively decrease in sound pressure in this
order by every 15 dB.

A seventh embodiment according to the present disclosure
further comprises a gain setting section configured to, based
on a result of determination by the gain determination
section, setting a hearing aid gain for each frequency under:
a 90 dBSPL input or a 80 dBSPL input; or a 90 dBSPL input
and a 80 dBSPL input.

In an eighth embodiment according to the present disclo-
sure, the gain determination section retains, as the predeter-
mined criterion, data which defines associations between
time-frequency related characteristic amounts measured of a
plurality of users and hearing aid gains under a 90 dBSPL
input or a 80 dBSPL input, and determines a hearing aid gain
against the predetermined criterion.

In a ninth embodiment according to the present disclo-
sure, the gain determination section retains said predeter-
mined criterions respectively for different frequencies of the
sound stimulation group, and uses a selected one of the
predetermined criterions in accordance with the frequency
of the sound stimulation group.

In a tenth embodiment according to the present disclo-
sure, the characteristic amount extraction section calculates
time-frequency information of the electroencephalogram
signal in a zone until the lapse of 300 ms since the point of
presenting each of the first sound, the second sound, and the
third sound, and adopts as a characteristic amount an aver-
aged value over a predetermined frequency range and a
predetermined time range.

In an eleventh embodiment according to the present
disclosure, the predetermined frequency range is a fre-
quency range defined by dividing a frequency range from
2.5 Hz to 12.5 Hz into nine.

In a twelfth embodiment according to the present disclo-
sure, the predetermined time range is 50 ms.

A thirteenth embodiment according to the present disclo-
sure 1s a hearing aid gain determination apparatus compris-
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ing: a characteristic amount extraction section for, from an
electroencephalogram signal of a user measured by a bio-
logical signal measurement section, extracting a time-fre-
quency related characteristic amount of an event-related
potential in the electroencephalogram signal after a point of
presenting each of a first sound, a second sound, and a third
sound from an output section, the first sound, the second
sound, and the third sound consecutively decreasing in
sound pressure in this order such that the respective sound
pressures are equal to or less than a predetermined threshold
value; and a gain determination section for, based on the
characteristic amounts extracted by the characteristic
amount extraction section, determining a hearing aid gain
against a predetermined criterion.

A fourteenth embodiment according to the present dis-
closure is a hearing aid gain determination method compris-
ing the steps of: measuring an electroencephalogram signal
of a user; determining a frequency of a sound stimulation
group including a first sound, a second sound, and a third
sound, the first to third sounds being pure tones; determining
sound pressures of the first sound, the second sound, and the
third sound so that the respective sound pressures are equal
to or less than a predetermined threshold value and that the
first sound, the second sound, and the third sound consecu-
tively decrease in sound pressure in this order; presenting
the first sound, the second sound, and the third sound to the
user at the determined frequency and sound pressures;
extracting a characteristic amount concerning time-fre-
quency information of an event-related potential in the
electroencephalogram signal in a predetermined time range
beginning after a point of presenting each of the first sound,
the second sound, and the third sound; and based on the
extracted characteristic amounts, determining a hearing aid
gain against a predetermined criterion.

A fifteenth embodiment according to the present disclo-
sure is a computer program stored on a non-transitory
computer-readable medium, and to be executed by a com-
puter mounted in a hearing aid gain determination apparatus
of a hearing aid gain determination system, wherein the
computer program causes the computer to execute the steps
of: determining a frequency of a sound stimulation group
including a first sound, a second sound, and a third sound,
the first to third sounds being pure tones; determining sound
pressures of the first sound, the second sound, and the third
sound so that the respective sound pressures are equal to or
less than a predetermined threshold value and that the first
sound, the second sound, and the third sound consecutively
decrease in sound pressure in this order; presenting the first
sound, the second sound, and the third sound to a user at the
determined frequency and sound pressures; from an elec-
troencephalogram signal of the user when the first sound, the
second sound, and the third sound are presented thereto,
extracting a characteristic amount concerning time-fre-
quency information of an event-related potential in a pre-
determined time range beginning after a point of presenting
each of the first sound, the second sound, and the third
sound; and based on the extracted characteristic amounts,
determining a hearing aid gain against a predetermined
criterion.

The general and specific embodiment above can be imple-
mented by using a system, an apparatus, a method, or a
computer program, or implemented by using a combination
of a system, an apparatus, a method, and/or a computer
program.

First, the definitions of the terms used in the present
specification will be described.

15

20

25

35

40

45

60

65

6

An “event-related potential (ERP)” is a fluctuation in the
potential of an electroencephalogram (EEG) that occurs in
response to a stimulation, and refers to a transient potential
fluctuation in the brain which occurs in temporal relation-
ship with an external stimulation or an internal event.

A “sound stimulation”, also referred to as an auditory
stimulation, is a sound which is presented to a user.

An “N1 component” is a negative component of event-
related potential which appears at about 100 ms since the
point of presenting a sound stimulation as a starting point.

A “P2 component” is a positive component of event-
related potential which appears at about 200 ms since the
point of presenting a sound stimulation as a starting point.

“Latency” is the time, based on the point of presenting an
audio stimulation as a starting point, until a peak potential of
a positive component or a negative component appears.

A “negative component” generally refers to a potential
which is smaller than O uV. In a comparison between two
potentials, the potential having the greater negative value
may be referred to as a negative component between the
two.

A “positive component” generally refers to a potential
which is greater than 0 pV. In a comparison between two
potentials, the potential having the greater value may be
referred to as a positive component between the two.

An “input sound pressure” refers to the sound pressure
(sound pressure level) of a sound which is input to a hearing
aid.

A “hearing aid gain” is an amount by which a hearing aid
amplifies a sound, for each sound pressure or each frequency
of sounds that may be input to the hearing aid. For example,
it corresponds to the difference between the sound pressure
(sound pressure level) of a sound which is input to the
hearing aid and the sound pressure (sound pressure level) of
a sound which is output from the hearing aid.

A “hearing threshold level (HTL)” is the sound pressure
of a softest sound that is audible to a user.

A “pure tone” is a tone which repetitively undergoes
periodic oscillation, such that it is expressed as a sine wave
having only one frequency component.

Generally speaking, there are 30 to 50 ms differences
(shifts) in event-related potential waveform between indi-
viduals, according to table 1 on p. 30 of “JISHOUKAN-
RENDENI (ERP) MANYUARU-—P300 WO CHUSH-
INNI—(or “Event-Related Potential (ERP) Manual—
mainly concerning P300—"), edited by Kimitaka KAGA et
al., Shinohara Shuppan Shinsha, 1995)”. Therefore, in the
present specification, the expression “about X ms” or “near
X ms” may be interpreted as encompassing a breadth of 30
to 50 ms before or after X ms (e.g., 100 ms+30 ms for an N1
component and 200 ms+50 ms for a P2 component).

Hereinafter, each embodiment will be described with
reference to the drawings.

A hearing aid gain determination system according to the
present embodiment presents a sound, and by using an
event-related potential of a user in response to the presented
sound, estimates an amount by which sound is to be ampli-
fied by a hearing aid. Specifically, the hearing aid gain
determination system, estimates the sound pressure of a
sound which is to be output after adjustment by a hearing
aid, for each sound frequency or each sound pressure.

Prior to describing the estimation technique, experiments
which have been conducted by the inventors and the experi-
mental results thereof will be described. More specifically,
the characteristics of event-related potential that enable
hearing aid gain determination, which the inventors have
found from the experimental data, will be described.
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(Description of Experimental Outline)

1. Experimental Outline

The inventors have conducted the following two experi-
ments for hearing aid users, in order to estimate an appro-
priate hearing aid gain for each frequency, given a prede-
termined input sound pressure.

One is a hearing aid characteristics measuring experiment
of measuring characteristics of a hearing aid which is daily
used by a hearing aid user. The hearing aid characteristics
measuring experiment was conducted by using a special
apparatus for hearing aid characteristics measurement (FO-
NIX FP35).

Another is an electroencephalogram measurement experi-
ment of measuring responses to sound stimulations. The
electroencephalogram measurement experiment was con-
ducted under two kinds of sound stimulation settings.

In each of Electroencephalogram measurement experi-
ment 1 and Electroencephalogram measurement experiment
2, a first sound, a second sound, and a third sound were
presented to each experimental participant as one set, with
a predetermined time interval between them. The first sound,
the second sound, and the third sound were pure tones of the
same frequency. In the present specification, one set of
sound stimulations (first sound, second sound, and third
sound) having the same frequency may be referred to as a
“sound stimulation group”.

In Electroencephalogram measurement experiment 1, the
first sound was 80 dBHL, the second sound was 75 dBHL,
and the third sound was 70 dBHL. In other words, the first
to third sounds consecutively decreased in sound pressure by
every 5 dB.

In Electroencephalogram measurement experiment 2, the
first sound was 80 dBHL, the second sound was 65 dBHL,
and the third sound was 50 dBHL. In other words, the first
to third sounds consecutively decreased in sound pressure by
every 15 dB.

In both of Flectroencephalogram measurement experi-
ment 1 and Electroencephalogram measurement experiment
2, an event-related potential in response to each of the first
to third sounds was measured.

A “pure tone” is a sound which repetitively undergoes
periodic oscillation at a single frequency and is expressed as
a sine wave. Herein, any sound whose frequency is under-
going changes that are not aurally distinguishable to the
human may also be regarded as a sound of a single fre-
quency.

Through Electroencephalogram measurement experi-
ments 1 and 2 above, it was examined whether it would be
possible to estimate, from a measured electroencephalogram
(event-related potential), a result of hearing aid character-
istics measurement when a sound having a sound pressure of
80 dBSPL or more was input (more specifically, under a 90
dBSPL input and under a 80 dBSPL input).

As a result, the inventors have found that, from the
electroencephalogram in response to sound stimulations of
sound pressures that are lower than a sound pressure which
is generally evaluated to be the UCL, a hearing aid gain
when 80 dBSPL or more is input (under a 90 dBSPL input
and under a 80 dBSPL input) 1s estimatable with an average
error of about 5 dB.

Now will be described a “sound pressure lower” than a
sound pressure which is generally evaluated to be the UCL.
Generally speaking, a sound pressure lower than a sound
pressure which is generally evaluated to be the UCL would
fluctuate depending on the HTL value.

UCL sound pressures which are estimated for different
HTL values are described in, for example, Pascoe, D. P.
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(1988). (Clinical measurements of the auditory dynamic
range and their relation to formulas for hearing aid gain. In
J. H. Jensen. (Ed.) Hearing Aid Fitting: Theoretical and
Practical Views 13th Danavox Symposium. Copenhagen:
Stougaard.) Based on a UCL which is thus determined from
the HTL, any sound pressure which is lower than this UCL
by e.g. 5 dB or more may be regarded as the “sound pressure
lower than a sound pressure which is generally evaluated to
be the UCL”.

In order to measure the level of hypacusia of each
experimental participant, his or her HTLs at 250 Hz, 500 Hz,
1000 Hz, 2000 Hz, and 4000 Hz were measured in advance.

Hereinafter, particulars of the experiments by the inven-
tors, experimental results, and characteristic features of
electroencephalogram that became clear through analysis of
the experimental results will be described.

(Description of Experimental Conditions)

2-1. Hearing Aid Characteristics Measuring Experiment
And Electroencephalogram Measurement Experiment

The experimental participants were 22 people with hypa-
cusia (between 61 and 80; average 73.0) who were wearing
a hearing aid(s) on a daily basis. The people with hypacusia
consisted of 15 males and 7 females. Among all participants,
hearing aids were worn on 18 right ears and 8 left ears
(totaling 26 ears). Four people had hearing aids worn on
both ears.

By using a method of quartering, an average hearing level
of participants was measured. The measurements showed
the following hypacusia levels among the 26 ears: 20 ears
had medium levels of hypacusia (40 to 69 dBHL); 3 ears had
low levels of hypacusia (26 to 39 dBHL); and 3 ears had
high levels of hypacusia (70 dBHL or higher).

In a method of quartering, a value which is calculated as
(a+2b+c)/4 is regarded as an average hearing level. Herein,
ais an HTL at 500 Hz; b is an HTL at 1000 Hz; and ¢ is an
HTL at 2000 Hz.

2-2. Hearing Aid Characteristics Measuring Experiment

In order to measure the gain of a hearing aid as daily used
by each user, the volume was set at the position of daily use.

By using a hearing aid characteristics measurement appa-
ratus, the sound pressure of an output sound from a hearing
aid for each of input sounds of 50, 60, 70, 80, and 90 dBSPL
was measured. The frequency was measured for input
sounds of 200 Hz to 8000 Hz. The sound pressure of the
output sound was measured by using a 2 cc coupler.

In order to reduce measurement errors, four measure-
ments were taken for each hearing aid, and an average of
output sounds of 500 Hz, 1000 Hz, 2000 Hz, and 4000 Hz
was determined.

FIGS. 1A and 1B show measurement results of hearing
aid output for each participant when a sound of 90 dBSPL
is input. In FIGS. 1A and 1B, the horizontal axis represents
frequency, and the vertical axis represents sound pressure
(dBSPL).

FIG. 1A shows measurement results for the 18 right ears
wearing a hearing aid, and FIG. 1B shows measurement
results for the 8 left ears wearing a hearing aid. It is clear
from FIGS. 1A and 1B that the hearing aid output under a
90 dBSPL input differs from user to user. For example, the
results shown in FIG. 1A indicate 40 dB differences of
output sound pressure among users for a sound of 500 Hz.

These results indicate that, given the same input sound
pressure, the appropriate gain would differ for each user.
Similar fluctuations were also observed for the hearing aid
output under a 80 dBSPL input. The average and standard
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deviation of hearing aid outputs at 500, 1000, 2000, and
4000 Hz were, respectively, 96.1+8.8,103.7+9.4, 105.1+8.7,
and 99.6+8.8 dBSPL.

Note that a hearing aid gain can be determined by
subtracting the sound pressure of an input sound to a hearing
aid from the sound pressure of an output sound from the
hearing aid.

2-3. Electroencephalogram Measurement Experiment

In Electroencephalogram measurement experiment 1,
three sound stimulations which monotonously decreased in
sound pressure in the order of 80 dBHL, 75 dBHL, and 70
dBHL were presented as a sound stimulation group, and
characteristic changes in event-related potential from sound
stimulation to sound stimulation were examined. The sound
stimulation group had one of four frequencies (500, 1000,
2000, 4000 Hz). Sound stimulation groups of different
frequencies were successively presented at a predetermined
time interval.

Electroencephalogram measurement experiment 2 was
conducted under the same conditions as in Electroencepha-
logram measurement experiment 1, except for the sound
pressures of the presented sound stimulations. In Electroen-
cephalogram measurement experiment 2, the sound stimu-
lations were consecutively presented with monotonously
decreasing sound pressures at 80 dBHL, 65 dBHL, and 50
dBHL.

Note that the sound pressures of the sounds presented in
Experiment 1 and Experiment 2 (80 dBHL, 75 dBHL, 70
dBHL, 65 dBHL, 50 dBHL) were lower than a sound
pressure which is generally evaluated to be the UCL.

Hereinafter, with reference to FIGS. 2A and 2B, FIG. 5,
and FIG. 13, detailed experimental settings and experimen-
tal results of Electroencephalogram measurement experi-
ments 1 and 2 will be described.

Each sound stimulation is a tone burst sound having a rise
of 3 ms, a duration 44 ms, and a fall of 3 ms.

The sound stimulations included in the sound stimulation
group were presented to the same ear at a predetermined
interval. The sound stimulations were output to one ear at a
time, by using headphones (HDA200, manufactured by
SENNHEISER). The sound pressure of each sound stimu-
lation was subjected to calibration by using a noise level
meter (LA-1440 from ONO SOKKI) and a coupler (IEC318
from Larson Davis).

FIG. 2A schematically shows the sound stimulations
presented in Electroencephalogram measurement experi-
ment 1, and FIG. 2B schematically shows the sound stimu-
lations in Electroencephalogram measurement experiment
2.

Prior to each experiment, it was explained to the partici-
pants that no attention needed to be paid to the sound
stimulations.

The interval between sound stimulations within the sound
stimulation group (i.e., ISI1 in FIGS. 2A and 2B) was fixed
at 300 ms. The interval between sound stimulation groups
(i-e., ISI2 in FIGS. 2A and 2B) was randomly decided in a
range of 450+50 ms. In each block, the sound stimulation
group was repeated 20 times for each of the right or left ear
and for each frequency (resulting in the sound stimulation
group being repeated a total of 160 times). For an improved
measurement accuracy, 3 blocks to 5 blocks of sound
stimulation group presentation were performed.

When a sound stimulation group of the same frequency is
successively presented to the same ear, the participant may
become accustomed to the sound stimulations, thus resulting
in a small event-related potential amplitude. This phenom-
enon is called the taming (habituation) of auditory evoked
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potential. In order to reduce taming of auditory evoked
potential, the frequency and the ear for which to present the
sound stimulation group were determined under the follow-
ing constraints.

A sound stimulation group of a different frequency from
that of an immediately previous sound stimulation
group is presented, and no sound stimulation group of
the same frequency is successively presented.

The ear to which the sound stimulation group is presented
1s randomly selected between right and left. However,
in order to ensure randomness of stimulations to the
right or left ear, not more than four sound stimulation
groups are successively presented to either the right or
left ear.

Next, the positions of electrodes to be worn for electro-
encephalogram measurement will be described. FIG. 3A
shows electrode positions according to the International
10-20 system (10-20 System). FIG. 3B shows the positions
of electrodes worn in this experiment. In FIG. 3B, circled
numbers 1 to 5 represent electrode positions Fz, Cz, Pz, C3,
and C4, respectively.

The inventors measured as the electroencephalogram
potential differences between active electrodes worn at Fz,
Cz, Pz, C3, and C4 and a reference electrode worn at the
right mastoid. A “mastoid” is a protrusion of the cranium
below the hind root of an ear. FIG. 3B shows the mastoid
position as “Ref”.

Moreover, in order to measure electrooculographic noises
that would mix into the electroencephalogram through
blinks and eye movements, electrodes (circled numbers 6
and 7 in FIG. 3B) were placed above the right eye and to the
right of the right eye.

The sampling frequency was 1000 Hz, and the time
constant was 1 second. A 30 Hz analog low-pass filter was
applied.

A 1-20 Hz digital band-pass filter was applied over the
entire duration of electroencephalogram data which was
measured off-line. Thereafter, as an event-related potential
in response to a sound stimulation for each of the right or left
ear, each frequency, and each sound pressure, a waveform
from -100 ms to 1000 ms was cut out from the first sound
of each sound stimulation group as a starting point. As used
herein, “~100 ms” means a point in time which is 100
milliseconds before the point in time of presenting the first
sound.

Moreover, a continuous wavelet transform was performed
for an electroencephalogram waveform in the range from 0
ms to 900 ms of the event-related potential, and a wavelet
coeflicient for each time and each frequency was obtained.
As the mother wavelet, the Mexican hat function (p(t)=(1-
t"2)exp(-t"2/2)) was used. The wavelet transform is a
method of determining time-frequency components of
event-related potential. So long as time-frequency compo-
nents are obtained, a short-time Fourier transform may be
performed, for example, without being limited to the wave-
let transform.

Arithmetic means of the waveform and wavelet coeffi-
cient of event-related potential were taken for each indi-
vidual, each of the right or left ear, and each frequency.
These are respectively referred to as an arithmetic mean
waveform and an arithmetic mean wavelet coeflicient. Those
trials which exhibited an amplitude with an absolute value of
80 1V or more at any electrode were excluded from the total
arithmetic mean and arithmetic mean, because they presum-
ably were under influence of noises, e.g., eye movements
and blinks.
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As a characteristic amount extracted from event-related
potential that can serve as an index of hearing aid gain, a
wavelet characteristic amount was derived. As used herein,
a wavelet characteristic amount is obtained as an average
value taken, in each of e.g. 30 divided parts along the time
axis (every 30 ms) and each of e.g. 9 divided parts along the
frequency axis (e.g. from 2.5 Hz to 12.5 Hz), of an arith-
metic mean wavelet coefficient.

Hereinafter, results of the electroencephalogram measure-
ment experiment will be described.

First, in order to confirm that an index of hearing aid gain
is contained in the event-related potential in response to
changing sound pressures, an actual hearing aid gain under
a 90 dBSPL input or a 80 dB input measured in the hearing
aid characteristics measuring experiment was compared
against an arithmetic-meaned event-related potential which
was obtained in the electroencephalogram measurement
experiment. In order to estimate a hearing aid gain from the
event-related potential, it is essential that a difference in
event-related potential exists that reflects the hearing aid
gain of each participant.

Based on the magnitude of hearing aid gain as measured
in the hearing aid characteristics measuring experiment, the
experimental participants were divided into two groups.
More specifically, for each frequency, a group with a large
hearing aid gain (hearing aid output) and a group with a
small hearing aid gain were established, depending on
whether the hearing aid output under a 90 dBSPL input or
a 80 dBSPL input was equal to or greater than the average
value, or smaller than the average value.

FIG. 4A and FIG. 4B show arithmetic mean waveforms at
the central portion (Cz) in Electroencephalogram measure-
ment experiment 1 and Electroencephalogram measurement
experiment 2. Each solid line represents the group whose
hearing aid output is equal to or greater than the average,
while each broken line represents the group whose hearing
aid output is smaller than the average. The horizontal axis
represents time in units of ms, and the vertical axis repre-
sents potential in units of ©V. On the horizontal axis, 0 ms
indicates the point in time of presenting the first sound.

A negative component which appears at about 100 ms
since the timing of each sound stimulation presentation
indicated by an arrow is an N1 component. A positive
component which appears at about 200 ms since the timing
of each sound stimulation presentation indicated by an arrow
is a P2 component. Regardless of whether the output sound
from the hearing aid is large or small, an N1 component and
a P2 component appear.

It can also be seen that the N1 component of the event-
related potential corresponding to the group with a small
hearing aid output (broken line) is greater in amplitude than
the N1 component of the event-related potential correspond-
ing to the group with a large hearing aid output (solid line).

Note that these results are dissimilar from the waveforms
of arithmetic mean event-related potentials when the same
sound stimulations are presented to people with normal
hearing, who are then grouped based on their subjectively-
reported UCL evaluation (called “subjective UCL”) being
large or small. Relative to the people with normal hearing
that had a large subjective UCL, the people with normal
hearing that had a small subjective UCL exhibited a P2
component with a small amplitude, especially in response to
the second sound and third sound. In other words, while
there may be differences in hearing among participants, it is
presumably in a different form from an index of UCL that an
index of hearing aid output under a 90 dBSPL input appears
in the event-related potential waveform.
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FIG. 5 and FIG. 13 show arithmetic mean waveforms and
arithmetic mean wavelet coefficients for different input
sound frequencies (500, 1000, 2000, 4000 Hz) in Electro-
encephalogram measurement experiment 1 and Electroen-
cephalogram measurement experiment 2. In the upper row
of FIG. 5§ is shown arithmetic mean waveforms; in the
middle row is shown arithmetic mean wavelet coefficients in
the cases where the hearing aid output is equal to or greater
than the average; and in the lower row is shown arithmetic
mean wavelet coeflicients in the cases where the hearing aid
output is smaller than the average.

Similarly to FIGS. 4A and 4B, each solid line represents
the case where the hearing aid output is equal to or greater
than the average, and each broken line represents the case
where it is smaller than the average. The horizontal axis
represents time in units of ms, and the vertical axis repre-
sents potential in units of V. On the horizontal axis, 0 ms
indicates the point in time of presenting the first sound. It can
be seen that, although the absolute value of the amplitude of
the N1 component differs depending on frequency, the N1
component amplitude is greater when the hearing aid output
is smaller-than-average than when the hearing aid output is
equal to or greater than the average. It can also be seen that,
at the arithmetic mean wavelet coefficients in the time slots
of particular difference in arithmetic mean, there is a differ-
ence depending on the hearing aid output being large or
small.

2-4. Estimation of Hearing Aid Output

From the results of Electroencephalogram measurement
experiment 1 and Electroencephalogram measurement
experiment 2, it was examined whether results of hearing aid
characteristics measurement under a 90 dBSPL input and
under a 80 dBSPL input are estimatable. Linear discrimi-
nation was used for the hearing aid output estimation. As
described earlier, a hearing aid gain is obtained by subtract-
ing an input sound pressure from the output sound pressure
of a hearing aid. Therefore, once the hearing aid output is
estimated, it can be said that the hearing aid gain has also
been estimated.

First, a wavelet characteristic amount was determined, as
described above. The wavelet characteristic amount was
generated by taking an average of the arithmetic mean
wavelet coeflicients for every scale (frequency range) over
a range of 0 to 900 ms, in time windows of 50 ms. Next, in
order to make an estimation based on linear discrimination,
hearing aid outputs under a 90 dBSPL input and under a 80
dBSPL input that were measured in the hearing aid charac-
teristics measuring experiment were rounded to every 5 dB.
Thus, the hearing aid characteristics in every 5 dB steps
were estimated through linear discrimination.

Specifically, each measured hearing aid output was
rounded up on 2 and down on 3. Then, two arbitrary wavelet
characteristic amounts were combined, and the correspon-
dence between the hearing aid outputs in every 5 dB steps
and wavelet characteristic amounts of participants other than
oneself was used as training data. The training data was
generated for each stimulation frequency, from pooled data
of the right and left ears for each input sound pressure.

The accuracy of hearing aid output estimation was evalu-
ated in terms of average error (i.e., an average of the absolute
values of differences between hearing aid outputs of all
participants for each of the right or left ear and each
frequency, taken in every 5 dB steps, and the estimated
hearing aid outputs). The average error was calculated for all
wavelet characteristic amount combinations.

FIGS. 6A, 6B and FIGS. 14A, 14B indicate results of
conducting linear discrimination based on the wavelet char-
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acteristic amounts obtained through, respectively, Electro-
encephalogram measurement experiment 1 and Electroen-
cephalogram measurement experiment 2. As an indication of
linear discrimination results, a distribution of correspon-
dence between hearing aid outputs for a 90 dBSPL input or
a 80 dBSPL input measured in the hearing aid characteristics
measuring experiment and the estimated hearing aid outputs
obtained through discriminant analysis by using the wavelet
characteristic amounts is each shown, where pooled data of
the right and left ears and stimulation frequencies is used. At
each lattice point, frequency is indicated by a circle symbol
in a corresponding size. Any circle symbol whose center is
on the broken line indicates a case where the hearing aid
output was correctly estimated.

It can be seen that, under both experiments and both input
sound pressures, hearing aid outputs are being successfully
estimated from the measured electroencephalogram, despite
some fluctuations. The average errors in hearing aid output
estimation for a 90 dBSPL input and a 80 dBSPL input in
Electroencephalogram measurement experiment 1 were,
respectively, 4.6 dB and 5.1 dB. The average errors in
hearing aid output estimation for a 90 dBSPL input and a 80
dBSPL input in Electroencephalogram measurement experi-
ment 2 were, respectively, 4.6 dB and 5.2 dB. Thus it can be
said that, from the event-related potentials measured while
successively presenting three pure tones of the same fre-
quency with a decrement of every 5 dB or 15 dB from 80
dBHL, a hearing aid output for each frequency, under a 90
dBSPL input or a 80 dBSPL input, can be estimated with a
high precision.

Incidentally, as the inventors confirmed, estimating hear-
ing aid outputs by using the aforementioned wavelet char-
acteristic amount with respect to input sounds having sound
pressures of 60 dBSPL and 70 dBSPL resulted in a lower
accuracy of estimation. Therefore, the above-described hear-
ing aid output estimation utilizing electroencephalogram
may be performed for estimating a hearing aid output with
respect to an input sound pressure of 80 dBSPL or more.

In order to examine which time slot and frequency band
produce a wavelet characteristic amount that most charac-
teristically contains information related to hearing aid output
estimation, a distribution of wavelet characteristic amounts
that minimize the average error was examined. FIG. 7 shows
a result from Electroencephalogram measurement experi-
ment 1, whereas FIG. 15 shows a result from of Electroen-
cephalogram measurement experiment 2. In the upper rows
of FIG. 7 and FIG. 15 1s shown the occurrence frequency of
wavelet characteristic amounts used in the upper 1% esti-
mations exhibiting least average errors. Both results indicate
that the average error becomes small when using wavelet
coeflicients in a time slot near the N1 component (latency of
about 100 ms) in response to the first sound, a time slot near
the P2 component (latency of about 200 ms) in response to
the second sound, and a time slot near the P2 component in
response to the third sound.

The lower rows of FIG. 7 and FIG. 15 indicate the
occurrence frequency of wavelet characteristic amounts in
every time window of 50 ms (six time windows for each of
the first to third sounds) used in the upper 1% estimations.
Both results indicate that the average error becomes small
when using wavelet coeflicients in a time slot near the N1
component (latency of about 100 ms) in response to the first
sound, a time slot near the P2 component (latency of about
200 ms) in response to the second sound, and a time slot near
the P2 component in response to the third sound. Among the
upper 1% estimations, what was utilized across most results
commonly with a probability of 15% or more was wavelet

20

25

30

40

45

55

60

65

14

characteristic amounts in a time slot near the N1 component
in response to the first sound, a time slot near the P2
component in response to the second sound, time slots near
the N1 component and P2 component in response to the third
sound.

Note that discriminant analysis may be conducted with
not only the wavelet characteristic amount, but also with the
information of P1-N1 amplitude and N1-2 amplitude.

Thus, it has become clear through the subjective report
experiment and electroencephalogram measurement experi-
ments conducted by the inventors that, when three pure
tones of the same frequency with monotonously descending
sound pressures are presented in a sound pressure range that
is lower than a sound pressure which is generally evaluated
to be the UCL, a hearing aid output under a 90 dBSPL input
or a 80 dBSPL input, for example, can be estimated by using
a characteristic amount (e.g., wavelet-coefficient related
characteristic amount) contained in the electroencephalo-
gram in response to each sound stimulation from first to third
sounds.

Embodiment 1

Hereinafter, first, the hearing aid gain determination sys-
tem 100 will be described in outline. Thereafter, the con-
struction and operation of a hearing aid gain determination
system 100 including the hearing aid gain measurement
apparatus 1 will be described.

The hearing aid gain determination system 100 according
to the present embodiment measures an electroencephalo-
gram (event-related potential) of a user to whom a sound
stimulation is presented, extracts a characteristic amount
therefrom, and from a change pattern of the characteristic
amount, determines a hearing aid gain under: (1) a 90
dBSPL input or a 80 dBSPL input; or (2) a 90 dBSPL input
and a 80 dBSPL input.

In the present embodiment, a probe electrode is provided
at the central portion (Cz), and a reference electrode is
provided on the right mastoid, thus to measure an electro-
encephalogram as a potential difference between the probe
electrode and the reference electrode. There is a possibility
that the level and polarity of a characteristic component of
the event-related potential may vary depending on the
position at which the electrode for electroencephalogram
measurement is attached, and the positions at which the
reference electrode and the probe electrode are set. How-
ever, based on the following description, those skilled in the
art will be able to make appropriate modifications so as to
adapt to the particular positions of the reference electrode
and the probe electrode, extract a characteristic feature of
event-related potential, and measure an uncomfortable
sound pressure. Such variants are within the scope of the
present invention.

FIG. 8 shows the functional block construction of a
hearing aid gain determination system 100 (hereinafter
referred to as a gain determination system 100) according to
the present embodiment. The gain determination system 100
includes a sound stimulation output section 10, a biological
signal measurement section 50, and a hearing aid gain
determination apparatus 1 (which hereinafter may also be
referred to as the gain determination apparatus 1).

The gain determination apparatus 1 includes an event-
related potential characteristic amount extraction section 55,
a hearing aid gain determination section 65, a sound stimu-
lation group determination section 70, a sound stimulation
sound pressure determination section 71, a sound stimula-
tion generation section 75, and a hearing aid gain setting
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section 80. In the following, the event-related potential
characteristic amount extraction section 55 may be referred
to as the “characteristic amount extraction section 55”; the
hearing aid gain determination section 65 as the “gain
determination section 657 the sound stimulation sound
pressure determination section 71 as the “sound pressure
determination section 71”; and the hearing aid gain setting
section 80 as the “gain setting section 80”.

The gain determination apparatus 1 is connected to the
sound stimulation output section 10 and the biological signal
measurement section 50 in a wired or wireless manner. The
sound stimulation output section 10 is constructed so as to
present sound stimulations to the user 5, whereas the bio-
logical signal measurement section 50 is constructed so as to
measure a biological signal (electroencephalogram) of the
user 5. For conciseness of explanation, the user 5 block is
also shown in the figure.

The sound stimulation output section 10 outputs to the
user 5 a sound stimulation group (first sound, second sound,
and third sound) of a certain frequency, with monotonously
descending sound pressures in a sound pressure range that is
lower than a sound pressure which is generally evaluated to
be the UCL.

The biological signal measurement section 50 is con-
nected to at least two electrodes A and B. For example,
electrode A is attached to a mastoid of the user 5, whereas
electrode B is attached at the central portion (so called Cz)
on the scalp of the user 5. The biological signal measurement
section 50 measures an electroencephalogram of the user 5
corresponding to a potential difference between electrode A
and electrode B.

From the electroencephalogram (event-related potential)
of the user 5 measured from the point of presenting each of
the first to third sounds as a starting point, the gain deter-
mination apparatus 1 extracts a wavelet coeflicient contain-
ing time-frequency information as a characteristic amount.
By using the extracted characteristic amounts in response to
the first to third sounds, the gain determination apparatus 1
estimates a hearing aid gain of the user 5. Each component
element will be specifically described later.
<Environment of Use>

FIG. 9 shows the construction and environment of use of
the hearing aid gain determination system 100 according to
the present embodiment. The gain determination system 100
corresponds to the system construction of Embodiment 1
shown in FIG. 8.

Thus, the hearing aid gain determination system 100
includes the gain determination apparatus 1, the sound
stimulation output section 10, and the biological signal
measurement section 50.

The biological signal measurement section 50 and the
sound stimulation output section 10 of the gain determina-
tion system 100 may be accommodated in the same housing.
Alternatively, the biological signal measurement section 50
and the sound stimulation output section 10 of the gain
determination system 100 may be accommodated in a sepa-
rate housing. In that case, the biological signal measurement
section 50 sends a measured electroencephalogram signal to
the gain determination apparatus 1 being connected in a
wireless or wired manner.

The gain determination apparatus 1 determines informa-
tion of sound stimulations for hearing aid gain measurement.
The sound stimulation information may include, for
example, the ear to which the stimulation is presented (right
or left ear), sound frequency, sound pressure, and timing of
sound presentation. The sound stimulation output section 10
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presents to the user 5 the sound stimulations thus determined
by the gain determination apparatus 1.

Moreover, from the event-related potential cut out based
on each sound stimulation of the first to third sounds as a
starting point, the gain determination apparatus 1 extracts a
characteristic amount with which to estimate a hearing aid
output.

For example, in the case where the sound pressure of a
sound which is output from a hearing aid is adjustable, the
gain determination system 100 of the present embodiment
estimates the hearing aid gain at a volume which is daily
used by the user. “Volume” means an amount by which a
hearing aid applies universal amplification to every sound.

For example, a hearing aid gain under an input sound
pressure of 90 dBSPL is estimated. The output sound
pressure of a hearing aid under an input sound pressure of 90
dBSPL is important for determining the compression ratio of
a hearing aid of non-linear amplification type (Kazuoki
KODERA, “HOCHOKI FITTINGU NO KANGAEKATA
(or “Concept of Hearing Aid Fitting”), 3rd edit., p. 81).

In order to determine a compression ratio more accurately,
it is preferable to determine not only an output sound
pressure of the hearing aid under an input sound pressure of
90 dBSPL, but also an output sound pressure of the hearing
aid under an input sound pressure other than 90 dBSPL.

For example, based on a pattern of changing characteristic
amounts with respect to changing sound pressures, a hearing
aid output is determined for each of the right or left ear, and
for each frequency, under: (1) 90 dBSPL input or a 80
dBSPL input; or (2) a 90 dBSPL input and a 80 dBSPL input.

<Hardware Construction of Hearing Aid Gain Determi-
nation Apparatus 1>

FIG. 10 shows the hardware construction of the hearing
aid gain determination apparatus 1 according to the present
embodiment. The gain determination apparatus 1 includes a
CPU 30, a memory 31, and an audio controller 32. The CPU
30, the memory 31, and the audio controller 32 are inter-
connected via a bus 34, so that data exchange among them
is possible.

The CPU 30 executes a computer program 35 which is
stored in the memory 31. A processing procedure as illus-
trated by a subsequently-described flowchart is described in
the computer program 35.

In accordance with the computer program 35, the gain
determination apparatus 1 performs processes such as gen-
eration of sound stimulations, characteristic amount extrac-
tion from event-related potential, and discriminant analysis
for hearing aid gain determination. These processes will be
specifically described later.

In accordance with instructions from the CPU 30, the
audio controller 32 outputs the sound stimulations for pre-
sentation via the sound stimulation output section 10 at
designated sound pressures.

Note that the gain determination apparatus 1 may be
implemented as a piece of hardware (e.g., a DSP) consisting
of a semiconductor circuit having a computer program
incorporated therein. Such a DSP can realize all functions of
the aforementioned CPU 30, memory 31, and audio con-
troller on a single integrated circuit. For example, the
characteristic amount extraction section 55, the gain deter-
mination section 65, the sound stimulation group determi-
nation section 70, the sound pressure determination section
71, the sound stimulation generation section 75, and the gain
setting section 80 are realized by the CPU 30.

The aforementioned computer program 35 may be dis-
tributed on the market in the form of a product recorded on
a storage medium such as a CD-ROM, or transmitted
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through telecommunication lines such as the Internet. Upon
reading the computer program 35, a device having the
hardware shown in FIG. 10 (e.g., a PC) is able to function
as the gain determination apparatus 1 according to the
present embodiment.

The respective functional blocks of the gain determination
apparatus 1 correspond to functions which are realized by
the CPU 30, the memory 31, and the audio controller 32 as
a whole upon executing the program which has been
described in conjunction with FIG. 10.

Hereinafter, the respectively component elements of the
hearing aid gain determination system 100 will be described.

<Sound Stimulation Group Determination Section 70>

The sound stimulation group determination section deter-
mines information of a plurality of sound stimulations
(sound stimulation group) to be presented to the user 5. In
the present embodiment, the sound stimulation group at least
includes a first sound, a second sound, and a third sound.

The sound stimulation group information includes, for
example, the ear to which a sound stimulation is presented
(right ear or left ear), the frequency of the presented sound
stimulation, the duration of each sound stimulation in the
sound stimulation group, and the interval between sound
stimulations. The sound stimulation group information may
at least include the sound stimulation frequency and the
interval between sound stimulations. Note that, rather than
being determined by the sound stimulation group determi-
nation section 70, the interval between sound stimulations
may be governed by predetermined information which is
stored in the sound stimulation output section 10 described
later.

It is desirable that any sound presented by the gain
determination system 100 has a sound pressure of a level
which is not felt uncomfortable to the user. Such sound
pressure control may be performed by the sound pressure
determination section 71 described later, for example.

The ear and frequency for presentation of the sound
stimulation group may be randomly determined based on the
following constraints, for example. No sound stimulation of
the same frequency as the immediately previous sound
stimulation group is selected. The ear is preferably selected
in random order between right and left. However, it is
preferable that not more than four sound stimulation groups
are successively presented to either the right or left ear.
Thus, the influence of taming (habituation) of the electro-
encephalogram due to successive presentation of sound
stimulation groups to the same ear and with the same
frequency is reduced, whereby hearing aid gain measure-
ment can be realized with a high precision. The duration of
a sound stimulation may be set to e.g. 25 ms or more, so that
an auditory evoked potential will be stably induced. More-
over, the interval between stimulations is set to a time which
is equal to or greater than the duration of a sound stimulation
and equal to or less than 1 second, e.g., 300 ms or 200 ms.

<Sound Stimulation Sound Pressure Determination Sec-
tion 71>

The sound pressure determination section 71 receives
sound stimulation group information from the sound stimu-
lation group determination section 70.

The sound stimulation group information is, for example,
the ear to which a sound stimulation is presented (right ear
or left ear), the frequency of the presented sound stimula-
tion, the duration of each sound stimulation in the sound
stimulation group, and the interval between sound stimula-
tions.

It suffices if the first sound, the second sound, and the
third sound at least have the same frequency. “Same fre-
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quency” is inclusive of sounds with a frequency difference
that 1s smaller than is aurally distinguishable to humans. In
the present specification, frequencies with a difference of 5
Hz or less are regarded as the same frequency.

The sound pressure determination section 71 determines
the sound pressures of the first to third sounds in the sound
stimulation group to be in a sound pressure range which is
lower than a given predetermined threshold value. More-
over, in the present embodiment, the sound pressure deter-
mination section 71 determines the sound pressures of the
first to third sounds so that the respective sounds consecu-
tively decrease in sound pressure, i.e., so as to satisfy the
relationship: sound pressure of first sound>sound pressure
of second sound>sound pressure of third sound.

Herein, the predetermined threshold value may be a sound
pressure which is generally evaluated to be the UCL, for
example. In other words, the sound pressures of the first to
third sounds are determined so as to fall within a sound
pressure range that is comfortably heard to the user 5.

The sound stimulation sound pressure determination sec-
tion 71 may retain a predetermined threshold value in
advance. The sound stimulation sound pressure determina-
tion section 71 may determine the sound pressure of the first
sound to be 80 dBHL, the sound pressure of the second
sound to be 75 dBHL, and the sound pressure of the third
sound to be 70 dBHL, for example, so that they are all below
this threshold value. Alternatively, for example, the sound
pressure of the first sound may be determined to be 80
dBHL, the sound pressure of the second sound to be 65
dBHL, and the sound pressure of the third sound to be 50
dBHL.

Moreover, the sound stimulation sound pressure determi-
nation section 71 may be controlled so as to never select any
sound pressure that is greater than the predetermined thresh-
old value.

<Sound Stimulation Generation Section 75>

Based on the sound stimulation group information
received from the sound pressure determination section 71,
the sound stimulation generation section 75 generates sound
stimulation data. Each sound stimulation may be a tone burst
sound having a rise and fall of 3 ms, for example.

The sound stimulation generation section 75 outputs a
sound stimulation to the user 5 via the sound stimulation
output section 10, and outputs a trigger signal to the bio-
logical signal measurement section 50 at that timing. Note
that the sound stimulation generation section 75 may be
arranged so as to only have a function of sending generated
sound stimulation data to the sound stimulation output
section 10.

The sound stimulation data may be generated in such a
manner that a single piece of sound stimulation data is
created for one sound stimulation group, from which a
plurality of sound stimulations that undergo changes in
sound pressure at a predetermined time interval are derived,
for example. In that case, the trigger signal to be sent to the
biological signal measurement section 50 may only be sent
at the timing of presenting the first sound.

Note that the sound stimulation generation section may
include an input device, or be connected to an external input
device. In this case, the user 5 or a person who tests the
hearing of the user 5 is able to input desired information
concerning sound stimulations by using the input device,
and the sound stimulation generation section 75 can generate
sound stimulations by using the information received from
the input device.
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<Sound Stimulation Output Section 10>

In accordance with the sound stimulation data generated
by the sound stimulation generation section 75, the sound
stimulation output section 10 presents sounds to the user 5.
Preferably, the sound stimulation output section 10 correctly
outputs sound stimulations generated by the sound stimula-
tion generation section 75 to the right or left ear. The sound
stimulation output section 10 may include headphones or a
loudspeaker whose frequency characteristics are free of
distortion, for example.

<Biological Signal Measurement Section 50>

The biological signal measurement section 50 is a mea-
suring instrument for measuring a biological signal of the
user 5. In the present disclosure, the biological signal
measurement section 50 is an electroencephalograph. As the
biological signal, the biological signal measurement section
measures an electroencephalogram corresponding to a
potential difference between a probe electrode and a refer-
ence electrode worn by the user 5.

The measured electroencephalogram may be subjected to
frequency filtering with an appropriate cutoff frequency. The
biological signal measurement section 50 sends the mea-
sured electroencephalogram or filtered electroencephalo-
gram to the event-related potential characteristic amount
extraction section 55. Hereinafter, a measured or filtered
electroencephalogram may also be referred to as “electro-
encephalogram data”.

For example, the biological signal measurement section
50 may be arranged to apply frequency filtering with an
appropriate cutoff frequency to the electroencephalogram
data, cut out an event-related potential in a predetermined
zone (e.g., a zone from 100 ms before the first sound
presentation to 400 ms after the third sound presentation)
based on the trigger signal received from the sound stimu-
lation generation section 75 as a starting point, and send that
waveform data (event-related potential) to the event-related
potential characteristic amount extraction section 55.

In the case where a band-pass filter is used as the
frequency filter, the cutoff frequency may be set so as to pass
e.g. 1 Hz to 20 Hz. It is assumed that the user 5 has worn the
electroencephalograph in advance. The probe electrode for
electroencephalogram measurement is attached at the cen-
tral portion Cz, and the reference electrode is attached at the
mastoid, for example.

The electroencephalogram data contains event-related
potential. The event-related potential is a change in the
potential of an electroencephalogram that occurs in response
to a certain stimulation. For example, the followings deter-
mine the type of an event-related potential signal: (1)
polarity (positive or negative) of potential; (2) latency (an
amount of time from a stimulation until the potential is
induced); (3) the amplitude level of potential; and so on.

<Event-Related Potential Characteristic Amount Extrac-
tion Section 35>

From the event-related potential received from the bio-
logical signal measurement section 50, the characteristic
amount extraction section 55 extracts a characteristic
amount for each of the first to third sounds.

The characteristic amount of an event-related potential is,
for example, time-frequency information of the event-re-
lated potential. An example of time-frequency information is
information concerning wavelet coefficients. In the follow-
ing description, each allusion to a “wavelet coeflicient” is
synonymous to time-frequency information of event-related
potential.

In the present embodiment, in accordance with the par-
ticulars of the sound stimulations received from the sound
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stimulation sound pressure determination section 71, the
characteristic amount extraction section 55 calculates
respective wavelet-coeflicient related characteristic amounts
for the first to third sounds.

The characteristic amount extraction section 55 sends the
calculated characteristic amount and the information of
sound stimulations (right or left ear, frequency, sound pres-
sure, etc.) to the hearing aid gain determination section 65.
The wavelet-coeflicient related characteristic amount may
be determined as an average value in a predetermined range
which is defined through division by a predetermined
breadth on each of the frequency axis and the time axis, for
example. For instance, 9 divisions may be made between 2.5
Hz to 12.5 Hz on the frequency axis, and the time axis may
be divided into time ranges of every 50 ms; and an average
of the wavelet coeflicients in such divided ranges may be
determined to be the characteristic amount. The breadths on
the frequency axis and the time axis by which averaging is
to be done for the characteristic amount calculation may be
finer or coarser than the above, so long as hearing aid gain
estimation is possible.

As described above, it is considered particularly effective
for hearing aid output estimation to analyze the periods
during which an N1 component and a P2 component would
appear in the event-related potential. Therefore, the charac-
teristic amount extraction section 55 may be arranged to
calculate time-frequency information (an average of wavelet
coeflicients) in a zone until the lapse of 300 ms since the
point of presenting each of the first sound, the second sound,
and the third sound.

<Hearing Aid Gain Determination Section 65>

Based on the respective wavelet-coeflicient related char-
acteristic amounts for the first to third sounds received from
the characteristic amount extraction section 55, the gain
determination section 65 determines a hearing aid gain for
each frequency.

The hearing aid gain determination section 65 employs a
predetermined criterion (training data, a discriminant func-
tion, etc.) to apply a linear discrimination to the received
wavelet characteristic amount, thereby making a hearing aid
gain estimation. Specifically, the predetermined criterion
means, for example, information which previously defines
associations between wavelet characteristic amounts and
hearing aid gain values. The predetermined criterion may be
a table defining associations between wavelet characteristic
amounts and hearing aid gain values, or a predetermined
equation. The hearing aid gain determination section 65 may
retain the predetermined criterion in advance.

The gain determination section 65 may retain a predeter-
mined criterion for each frequency of the sound stimulation
group. Alternatively, the gain determination section 65 may
be arranged to employ an externally acquired predetermined
criterion.

The predetermined criterion may be training data which is
generated from the hearing aid gain under a 90 dBSPL input
or a 80 dBSPL input, for example. The training data may be
generated based on hearing aid gains and wavelet charac-
teristic amounts which are measured by previously conduct-
ing the aforementioned hearing aid characteristics measur-
ing experiment and electroencephalogram measurement
experiment with respect to at least two other people.

Herein, the sound stimulation conditions concerning the
sound pressures and number of sound stimulations in the
electroencephalogram measurement experiment for gener-
ating the predetermined criterion need to identically con-
form to the pattern of changing stimulation sound pressure
as determined by the sound stimulation sound pressure
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determination section 71. The predetermined criterion may
be retained so as to be itemized for each frequency, based on
pooled data of both right and left ears. In that case, based on
the information of sound stimulation frequency received
from the characteristic amount extraction section 55, the
predetermined criterion used in the hearing aid gain mea-
surement may be switched so that the frequency of the one
who is the subject of determination matches the frequency of
the predetermined criterion.

Moreover, the predetermined criterion may be switched
according to the user’s symptoms of hypacusia. For
example, different predetermined criteria may be applied to
general categories such as conductive deafness and percep-
tive deafness. Also, predetermined criteria may be prepared
and switched for different audiogram patterns, e.g., gradual
low tone loss or gradual high tone loss. The hearing aid gain
determination section 65 sends the determined hearing aid
gain to the hearing aid gain setting section 80.

<Hearing Aid Gain Setting Section 80>

The gain setting section 80 allows the hearing aid gain
received from the gain determination section 65 to be set in
the hearing aid of the user 5, the hearing aid gain having
been estimated for each frequency under: (1) a 90 dBSPL
input or a 80 dBSPL input; or (2) a 90 dBSPL input and a
80 dBSPL input.

<Processing by Hearing Aid Gain Determination System
100>

With reference to FIG. 11, a processing procedure by the
gain determination system 100 shown in FIG. 8 will be
described. FIG. 11 is a flowchart showing exemplary pro-
cessing by the gain determination system 100.

(Step S101)

The sound stimulation group determination section 70
determines the ear and frequency for which the sound
stimulation group is to be presented, the durations of sound
stimulations within the sound stimulation group, and the
interval between stimulations. The ear and frequency for
presentation may be randomly determined based on the
following constraints, for example. No sound stimulation of
the same frequency as the immediately previous sound
stimulation group is selected. The ear is selected in random
order between right and left. However, not more than four
sound stimulation groups are successively presented to
either the right or left ear. The duration of each sound
stimulation is set to e.g. 25 ms or more, so that an auditory
evoked potential will be stably induced. Moreover, the
interval between stimulations is set to a time which is equal
to or greater than the duration of a sound stimulation and
equal to or less than 1 second, e.g., 300 ms or 200 ms. The
information having been determined of the ear and fre-
quency for which the sound stimulation group is to be
presented, the durations of sound stimulations within the
sound stimulation group, and the interval between stimula-
tions, is sent to the sound stimulation sound pressure deter-
mination section 71.

(Step S102)

From the sound stimulation group determination section
70, the sound pressure determination section 71 receives the
information of the ear and frequency for which the sound
stimulation group is to be presented, the durations of sound
stimulations within the sound stimulation group, and the
interval between stimulations. Then, the sound pressures of
the first to third sounds in the sound stimulation group are
determined to be monotonously descending within a sound
pressure range that is lower than a sound pressure which is
generally evaluated to be the UCL. For example, the sound
pressure of the first sound may be determined to be 80
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dBHL, the sound pressure of the second sound to be 75
dBHL, and the sound pressure of the third sound to be 70
dBHL. Alternatively, the sound pressure of the first sound
may be determined to be 80 dBHL, the sound pressure of the
second sound to be 65 dBHL, and the sound pressure of the
third sound to be 50 dBHL. The determined sound pressures
of the sound stimulations in the sound stimulation group are
sent to the sound stimulation generation section 75, together
with the information received from the sound stimulation
group determination section 70.

(Step S103)

The sound stimulation generation section 75 generates
sound stimulation data based on the sound stimulation
information received from the sound pressure determination
section 71. Each sound stimulation may be a tone burst
sound having a rise and fall of 3 ms and a duration of 44 ms,
for example.

(Step S104)

At step S104, the sound stimulation generation section
outputs a sound stimulation to the user via the sound
stimulation output section 10, and outputs a trigger signal to
the biological signal measurement section 50 at that timing.
The sound stimulation data may be generated in such a
manner that a single piece of sound stimulation data is
created for one sound stimulation group, from which a
plurality of sound stimulations that undergo changes in
sound pressure at a predetermined time interval are derived,
for example. In that case, the trigger signal to be sent to the
biological signal measurement section 50 may only be sent
at the timing of presenting the first sound.

(Step S105)

The biological signal measurement section 50 measures
an electroencephalogram as a biological signal. Then, it
applies frequency filtering with an appropriate cutoff fre-
quency to the electroencephalogram data, and based on a
trigger received from the sound stimulation generation sec-
tion 75 as a starting point, cuts out an event-related potential
in a predetermined zone (e.g., a zone from 100 ms before the
first sound presentation to 400 ms after the n™ sound
presentation), and sends that waveform data (event-related
potential) to the characteristic amount extraction section 55.

(Step S106)

In accordance with the particulars of the sound stimula-
tions received from the sound pressure determination section
71, the characteristic amount extraction section 55 calculates
respective wavelet-coeflicient related characteristic amounts
for the first to third sounds from the event-related potentials
received from the biological signal measurement section 50.
For example, by using a Mexican hat mother wavelet,
wavelet coeflicients from 2.5 Hz to 12.5 Hz are obtained.

(Step S107)

At step S107, based on the sound stimulation information
received from the sound pressure determination section 71,
the characteristic amount extraction section 55 takes an
arithmetic mean of the wavelet coeflicients calculated at step
S106 for each of the right or left ear and for each frequency.

(Step S108)

The characteristic amount extraction section 55 deter-
mines whether the number of summations in the arithmetic
mean for the sound stimulations of the sound stimulation
group presented at step S104 has reached a predetermined
number of times. If the number of summations is less than
the predetermined number of times, the process returns to
step S101 to repeat presentation of the sound stimulation
group. If the number of summations is equal to or greater
than the predetermined number of times, the characteristic
amount extraction section 55 sends the arithmetic-meaned
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wavelet-coefficient related characteristic amount to the hear-
ing aid gain determination section 65, and the process
proceeds to step S108. The predetermined number of times
may be 20 times, for example. Note that “20 times” is a mere
example, although it is a number of summations which is
frequently adopted in the fields where event-related poten-
tials are to be measured.

(Step S109)

By using the respective wavelet-coeflicient related char-
acteristic amounts of the first to third sounds received from
the characteristic amount extraction section 55, the hearing
aid gain determination section 65 determines a hearing aid
gain. The hearing aid gain determination can be achieved
through a linear discrimination utilizing training data (pre-
determined criterion) that is prepared in advance, which is
generated from wavelet characteristic amounts and hearing
aid gains under a 90 dBSPL input or a 80 dBSPL input of
other people, for example. A number of training data may be
prepared for use in hearing aid gain measurement at different
frequencies, and switched so that the frequency of the one
who is the subject of determination matches the frequency of
the training data. The training data may also be switched for
each of the right or left ear, in addition to frequency.
Moreover, the training data may be switched according to
the user’s symptoms of hypacusia. For example, training
data may be prepared and switched between general catego-
ries, e.g., conductive deafness and perceptive deafness. Also,
training data may be prepared and switched according to the
audiogram pattern, e.g., gradual low tone loss or gradual
high tone loss.

(Step S110)

The hearing aid gain setting section 80 allows the hearing
aid gain result for each frequency, which is received from the
gain determination section 65, to be set to the hearing aid of
the user 5.

With the hearing aid gain determination system 100 of the
present embodiment, for example, three pure tones of the
same frequency with monotonously descending sound pres-
sures are presented, and electroencephalographic character-
istic amounts in response to the respective sound stimula-
tions from first to third sounds are extracted. From the
pattern of changing characteristic amounts, a hearing aid
gain for each frequency can be directly measured under: (1)
a 90 dBSPL input or a 80 dBSPL input; or (2) a 90 dBSPL
input and a 80 dBSPL input. As a result, the precision
concerning the compression ratio of a hearing aid of non-
linear amplification type is improved, and a hearing aid
fitting can be realized which provides more than satisfactory
hearing while a hearing aid is worn.

In the description of the present embodiment, the biologi-
cal signal measurement section 50 cuts out an event-related
potential in a predetermined range based on a trigger signal
from the sound stimulation generation section 75 as a
starting point, and sends it to the characteristic amount
extraction section 55. However, this process is an example.
In another process, for example, the biological signal mea-
surement section 50 may constantly measure an electroen-
cephalogram, and the characteristic amount extraction sec-
tion 55 may perform cutting out of an event-related potential
and a baseline correction as needed. With such construction,
the sound stimulation generation section 75 does not need to
send a trigger signal to the biological signal measurement
section 50, but may send a trigger signal to the event-related
potential characteristic amount extraction section 55.

Although the present embodiment illustrates that the
result of hearing aid gain measurement is set to the hearing
aid of the user 5 by the hearing aid gain setting section 80,
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this is not essential. For example, in the case where the
hearing aid gain setting section 80 is provided external to the
hearing aid gain determination apparatus 1, each result of
determination by the hearing aid gain determination section
65 may simply be output, or accumulated. Thus, each result
of determination becomes available as information for hear-
ing aid gain setting.

Moreover, as shown in FIG. 12, the hearing aid gain
determination system 100 may include a hearing aid gain
determination apparatus 11, a sound stimulation apparatus
12, the biological signal measurement section 50, and the
hearing aid gain setting section 80. The hearing aid gain
determination apparatus 11, the sound stimulation apparatus
12, biological signal measurement section 51, and the hear-
ing aid gain setting section 80 are interconnected in a wired
or wireless manner for exchange of information.

The hearing aid gain determination apparatus 11 includes
the event-related potential characteristic amount extraction
section 55 and the hearing aid gain determination section 65.
The sound stimulation apparatus 12 includes the sound
stimulation output section 10, the sound stimulation group
determination section 70, the sound stimulation sound pres-
sure determination section 71, and the sound stimulation
generation section 75.

The event-related potential characteristic amount extrac-
tion section 55 of the hearing aid gain determination appa-
ratus 11 receives an electroencephalogram measured by the
biological signal measurement section 50, and sound stimu-
lation group information which is output from the sound
stimulation output section 10.

Similarly to the above, from an electroencephalogram
signal which is measured by the biological signal measure-
ment section 50, the event-related potential characteristic
amount extraction section 55 extracts a characteristic
amount concerning the time-frequency information of an
event-related potential which is contained in a predeter-
mined time range after a point in time of presenting each
sound stimulation in the sound stimulation group. Based on
the characteristic amount extracted by the characteristic
amount extraction section, the hearing aid gain determina-
tion section 65 determines a hearing aid gain for the fre-
quency of the sound stimulation group, against a predeter-
mined criterion.

The hearing aid gain determination system according to
the present disclosure is able to determine a hearing aid gain
from the electroencephalogram of a given user, and thus is
useful for the adjustment of a hearing aid at a hearing aid
shop or in households, etc.

While the present disclosure has been described with
respect to preferred embodiments thereof, it will be apparent
to those skilled in the art that the present disclosure may be
modified in numerous ways and may assume many embodi-
ments other than those specifically described above. Accord-
ingly, it is intended by the appended claims to cover all
modifications of the disclosure that fall within the true spirit
and scope of the invention.

What is claimed is:

1. A hearing aid gain determination system comprising:

one or more memories; and

circuitry which in operation is configured to:

measure an electroencephalogram signal of a user;

determine a frequency of a sound stimulation group

including a first sound, a second sound, and a third
sound, the first to third sounds being pure tones and
having a same frequency;

determine sound pressures of the first sound, the second

sound, and the third sound so that the respective sound
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pressures are equal to or less than a predetermined
threshold value and that the first sound, the second
sound, and the third sound consecutively decrease in
sound pressure in this order;

present the first sound, the second sound, and the third

sound to the user at the determined frequency and
sound pressures;

extract a characteristic amount concerning time-fre-

quency information of an event-related potential in the
electroencephalogram signal in a predetermined time
range beginning after a point of presenting each of the
first sound, the second sound, and the third sound, the
characteristic amount of the event-related potential
being extracted based on at least one of an N1 com-
ponent in response to the first sound, a P2 component
in response to the second sound, and a P2 component
in response to the third sound; and

determine a hearing aid gain for the frequency of the

sound stimulation group against a predetermined cri-
terion based on the characteristic amounts extracted by
the circuitry.

2. The hearing aid gain determination system of claim 1,
wherein the circuitry is configured to determine a hearing
aid output under an input sound pressure of 80dBSPL or
more against a predetermined criterion which previously
defines associations between the characteristic amounts and
hearing aid output values which are set under an input sound
pressure of 80dBSPL or more.

3. The hearing aid gain determination system of claim 2,
wherein the circuitry is configured to determine a hearing
aid output under an input sound pressure having a 90dBSPL
or 80dBSPL against a predetermined criterion which previ-
ously defines associations between the characteristic
amounts and hearing aid output values under a 90dBSPL
input or a 80dBSPL input.

4. The hearing aid gain determination system of claim 1,
wherein the predetermined threshold value is a sound pres-
sure lower than a generic uncomfortable level (UCL) value.

5. The hearing aid gain determination system of claim 1,
wherein the circuitry is configured to determine the sound
pressures of the first sound, the second sound, and the third
sound so that the first sound, the second sound, and the third
sound consecutively decrease in sound pressure in this order
by every 5 dB.

6. The hearing aid gain determination system of claim 1,
wherein the circuitry is configured to determine the sound
pressures of the first sound, the second sound, and the third
sound so that the first sound, the second sound, and the third
sound consecutively decrease in sound pressure in this order
by every 15 dB.

7. The hearing aid gain determination system of claim 3,
wherein the circuitry further is configured to set a hearing
aid gain for each frequency under: a 90dBSPL input or a
80dBSPL input; or a 90dBSPL input and a 80dBSPL input,
based on a result of the determination of the hearing aid
output.

8. The hearing aid gain determination system of claim 3,
wherein the circuitry is configured to retain, as the prede-
termined criterion, data which defines associations between
time-frequency related characteristic amounts measured of a
plurality of users and hearing aid gains under a 90dBSPL
input or a 80dBSPL input, and determines a hearing aid gain
against the predetermined criterion.

9. The hearing aid gain determination system of claim 1,
wherein the circuitry is configured to retain said predeter-
mined criterions respectively for different frequencies of the
sound stimulation group, and uses a selected one of the
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predetermined criterions in accordance with the frequency
of the sound stimulation group.
10. The hearing aid gain determination system of claim 1,
wherein the circuitry is configured to calculate time-fre-
quency information of the electroencephalogram signal in a
zone until the lapse of 300 ms since the point of presenting
each of the first sound, the second sound, and the third
sound, and adopts as a characteristic amount an averaged
value over a predetermined frequency range and a prede-
termined time range.
11. The hearing aid gain determination system of claim
10, wherein the predetermined frequency range is a fre-
quency range defined by dividing a frequency range from
2.5 Hz to 12.5 Hz into nine.
12. The hearing aid gain determination system of claim
10, wherein the predetermined time range is 50 ms.
13. A hearing aid gain determination apparatus compris-
ing:
one or more memories; and
circuitry which in operation is configured to:
extract, from an electroencephalogram signal of a user
measured by an electroencephalograph, a time-fre-
quency related characteristic amount of an event-re-
lated potential in the electroencephalogram signal after
a point of presenting each of a first sound, a second
sound, and a third sound from an output section, the
first sound, the second sound, and the third sound
having a same frequency and consecutively decreasing
in sound pressure in this order such that the respective
sound pressures are equal to or less than a predeter-
mined threshold value, the characteristic amount of the
event-related potential being extracted based on at least
one of an N1 component in response to the first sound,
a P2 component in response to the second sound, and
a P2 component in response to the third sound; and

determine a hearing aid gain against a predetermined
criterion based on the characteristic amounts extracted
by the circuitry.

14. A hearing aid gain determination method comprising
the steps of:

measuring an electroencephalogram signal of a user;

determining a frequency of a sound stimulation group

including a first sound, a second sound, and a third
sound, the first to third sounds being pure tones and
having a same frequency;

determining sound pressures of the first sound, the second

sound, and the third sound so that the respective sound
pressures are equal to or less than a predetermined
threshold value and that the first sound, the second
sound, and the third sound consecutively decrease in
sound pressure in this order;

presenting the first sound, the second sound, and the third

sound to the user at the determined frequency and
sound pressures;

extracting a characteristic amount concerning time-fre-

quency information of an event-related potential in the
electroencephalogram signal in a predetermined time
range beginning after a point of presenting each of the
first sound, the second sound, and the third sound, the
characteristic amount of the event-related potential
being extracted based on at least one of an N1 com-
ponent in response to the first sound, a P2 component
in response to the second sound, and a P2 component
in response to the third sound; and

based on the extracted characteristic amounts, determin-

ing a hearing aid gain against a predetermined criterion.
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15. A non-transitory computer-readable medium storing a
computer program to be executed by a computer mounted in
a hearing aid gain determination apparatus of a hearing aid
gain determination system,

wherein the computer program causes the computer to

execute the steps of:

determining a frequency of a sound stimulation group

including a first sound, a second sound, and a third
sound, the first to third sounds being pure tones and
having a same frequency;

determining sound pressures of the first sound, the second

sound, and the third sound so that the respective sound
pressures are equal to or less than a predetermined
threshold value and that the first sound, the second
sound, and the third sound consecutively decrease in
sound pressure in this order;

presenting the first sound, the second sound, and the third

sound to a user at the determined frequency and sound
pressures;

from an electroencephalogram signal of the user when the

first sound, the second sound, and the third sound are
presented thereto, extracting a characteristic amount
concerning time-frequency information of an event-
related potential in a predetermined time range begin-
ning after a point of presenting each of the first sound,
the second sound, and the third sound, the characteristic
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amount of the event-related potential being extracted
based on at least one of an N1 component in response
to the first sound, a P2 component in response to the
second sound, and a P2 component in response to the
third sound; and

based on the extracted characteristic amounts, determin-

ing a hearing aid gain against a predetermined criterion.

16. The hearing aid gain determination system of claim 1,
wherein the circuitry further is configured to set a hearing
aid gain based on the hearing aid gain determination.

17. The hearing aid gain determination apparatus of claim
13, wherein the circuitry further is configured to set a
hearing aid gain based on the hearing aid gain determination.

18. The hearing aid gain determination method of claim
14, further comprising a step of setting a hearing aid gain
based on the hearing aid gain determination.

19. The non-transitory computer-readable medium of
claim 15, wherein the computer program further causes the
computer to execute a step of setting a hearing aid gain
based on the hearing aid gain determination.

20. The hearing aid gain determination system of claim 1,
wherein the circuitry determines a hearing aid gain for a
90dBSPL input based on a P2 component in response to the
third sound, and a hearing aid gain for an 80dBSPL input
based on an N1 component in response to the first sound.

L S T T



THMBW(EF)

RE(EFR)AGE)

HAT R E(ZFRR)AGE)

FRI& B A

RAAN

IPCH %5
CPCH %5
1R AR

H 2 FF 3k
SAERaERE

E)

BhUTER IR WME RS |, BTSRRI SWES AN T ENER

US9712931 K (2E)R
US14/137802 iR
MTEE~ ket

PANASONICHIIR= N EBRERLF.

ADACHI SHINOBU
MORIKAWA KOJI
OZAWA JUN

ADACHI, SHINOBU
MORIKAWA, KOJI
OZAWA, JUN

A61B5/048 A61B5/00 HO4R25/00 A61B5/0484 A61B5/12

patsnap

2017-07-18

2013-12-20

HO04R25/70 A61B5/04845 A61B5/121 A61B5/72 A61B5/7282 A61B5/125 A61B5/7257

2012098430 2012-04-24 JP

US20140105436A1

Espacenet USPTO

B SRR ERS SR  AWESNERS  ATINENBRESF

FAWMERD  ATHESES - F-AFE=FENFTANMEF
EWERD  ATHEE-EX=FETNFE A 8N FENTHR

B, AEF-EF=FEELR/ D , ATHUBEENMENSEE
ERF-EFX=-FEHRIERIHY A RATHER2AF-EHX=FEZR
RESHEEE N SEAEXBANRRERBXNIHIEE BREES
%, BTETRAEEMEN THERETERS ZRIBER MR BT 2518

o

OUTPUT SOUND FRESSURE JB SPL

dB SPL
LEFT 9003 INPUT

RIGHTEAR LEFTEAR


https://share-analytics.zhihuiya.com/view/b7521d89-d2e7-4022-a7a9-f06b25546f56
https://worldwide.espacenet.com/patent/search/family/049482544/publication/US9712931B2?q=US9712931B2
http://patft.uspto.gov/netacgi/nph-Parser?Sect1=PTO1&Sect2=HITOFF&d=PALL&p=1&u=%2Fnetahtml%2FPTO%2Fsrchnum.htm&r=1&f=G&l=50&s1=9712931.PN.&OS=PN/9712931&RS=PN/9712931

