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Description

[0001] The present disclosure relates to a magnetic
resonance imaging (MRI) apparatus for diagnosing var-
ious diseases using MRI, and a control method thereof.
More particularly, the present disclosure relates to
sounds emitted by the MRI during operation.
[0002] In general, a medical imaging system is an ap-
paratus for providing information about an internal area
of a patient as an image. In general, medical imaging
systems include, for example, an X-ray machine, an ul-
trasonic diagnostic instrument, a computer tomography
(CT) scanner, a magnetic resonance imaging (MRI) ap-
paratus, etc.
[0003] The MRI apparatus holds an important position
in the field of medical imaging diagnosis because image-
taking conditions are relatively free and can provide ex-
cellent detectability and various diagnosis information
images with respect to soft tissue.
[0004] The MRI causes nuclear magnetic resonance
(NMR) in the hydrogen atomic nuclei of the human body
using a magnetic field harmless to humans and RF which
is non-ionizing radiation, to thus image the densities and
physical or chemical characteristics of the atomic nuclei.
[0005] In more detail, the MRI apparatus supplies a
specific frequency and energy to atomic nuclei in the state
in which a constant magnetic field has been applied to
the atomic nuclei, to cause the atomic nuclei to release
energy, and converts the energy released from the atom-
ic nuclei to signals, thereby diagnosing the inside human
body.
[0006] When a magnetic field is applied, protons con-
figuring atomic nuclei are arranged in the direction of the
magnetic field since they have spin angular momentum
and magnetic dipole moment, and the atomic nuclei per-
form precession with respect to the direction of the mag-
netic field. The precession causes nuclear magnetic res-
onance so that an image of the inside human body can
be acquired through the nuclear magnetic resonance.
[0007] Meanwhile, scanning using a MRI apparatus
generally generates a loud noise of about 100 dB. The
loud noise that is generated upon scanning using the
MRI apparatus is mainly due to the vibration of coils by
the Lorentz force that is generated when current is ap-
plied to gradient coils in order to form gradient magnetic
fields suitable for a specific scanning protocol.
[0008] Due to the noise generated by the MRI appa-
ratus, during the scanning period from about 30 minutes
to about 1 hour, an operator in an operating room turns
down the volume of a speaker connected to a microphone
located in a scan room to zero when he or she determines
that conversation with a patient is unnecessary so as not
to listen to noise captured by the microphone.
[0009] However, in the case where the operator turns
the speak volume to zero, a problem arises when the
patient wants to communicate with the operator because
he or she feels discomfort or an emergency situation has
occurred, the patient cannot communicate with the op-

erator.
[0010] EP 0655730 describes an MRI system compris-
ing a communication system, wherein a reference signal
is generated using an output of the gradient signal gen-
erator. At a summing device, the reference signal is add-
ed in anti-phase to a delayed sound from the microphone,
thereby substantially removing the gradient noise from
the sound input. Therefore, it is an aspect of the present
invention to provide a magnetic resonance imaging (MRI)
apparatus for comparing a sound generated in the bore
of the MRI apparatus to a pulse sequence sound in order
to adjust the output level of a sound output unit located
in an operating room, and a control method of the MRI
apparatus according to the present invention. This object
is achieved with an MRI apparatus according to claim 1.
Additional aspects of the invention will be set forth in part
in the description which follows and, in part, will assist a
person of ordinary skill in the art to better understand the
invention from the description, or may be learned by prac-
tice of the invention.
[0011] In accordance with one exemplary aspect of the
present invention, a magnetic resonance imaging (MRI)
apparatus can include: a sound input unit located in a
bore; a sound output unit located in a workstation and
configured to output a sound acquired by the sound input
unit; and a controller configured to compare the acquired
sound to a pulse sequence sound stored in advance, and
to increase the output level of the sound output unit when
the acquired sound is not identical to the pulse sequence
sound.
[0012] According to an exemplary aspect of the inven-
tion, if the acquired sound is identical to the sound of the
pulse sequence, the controller can decrease the output
level of the sound output unit to a predetermined level.
[0013] The MRI apparatus can further include a se-
quence sound database configured to store patterns of
sounds that are respectively generated for a plurality of
pulse sequences registered in the MRI apparatus when
a subject is scanned according to at least one of the pulse
sequences.
[0014] The controller can check a pulse sequence be-
ing used to scan a subject, receive a sound generated
in a bore from the sound input unit, compare the received
sound to a sound of the checked pulse sequence, and
increase the output level of the sound output unit to a
predetermined level when the pattern of the received
sound is not identical to the pattern of the checked pulse
sequence sound.
[0015] If the pattern of the acquired sound is not iden-
tical to the pattern of the pulse sequence sound, the con-
troller can eliminate a part corresponding to the pulse
sequence sound from the acquired sound, increase the
output level of the sound output unit to a predetermined
level, and output the sound from which the pulse se-
quence sound has been eliminated, through the sound
output unit whose output level has increased to the pre-
determined level.
[0016] In addition, if the pattern of the acquired sound
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is not identical to the pattern of the pulse sequence
sound, the controller can eliminate a part corresponding
to the pulse sequence sound from the acquired sound,
determine whether the sound from which the pulse se-
quence sound has been eliminated is identical to a sub-
ject’s voice stored in advance, increase the output level
of the sound output unit to a predetermined level when
the sound from which the pulse sequence sound has
been eliminated is identical to the subject’s voice, and
output the sound from which the pulse sequence sound
has been eliminated, through the sound output unit
whose output level has increased to the predetermined
level.
[0017] On the other hand, if the controller determines
that the pattern of the acquired sound is identical to the
pattern of the pulse sequence sound after increasing the
output level of the sound output unit, the controller can
then decrease the output level of the sound output unit
to an original level to which the sound output unit has
been set before the output level of the sound output unit
increases.
[0018] The sound input unit may include a microphone,
and may be located in the inside space of the bore in
which a subject is located.
[0019] Also, a sound output unit for outputting a sound
transferred from the workstation may be provided in the
inside space of the bore, and the sound output unit can
include a speaker.
[0020] Additionally, the sound output unit can include,
for example, a speaker, a sound input unit for allowing
an operator to input a sound to be transferred to the bore
may be provided in the workstation, and the sound input
unit can include a microphone.
[0021] In accordance with another exemplary aspect
of the present invention, a sound output apparatus can
include: a receiving unit configured to receive a sound;
an output unit configured to output the sound received
by the receiving unit; and an output adjusting unit con-
figured to compare the received sound to a sound of a
pulse sequence stored in advance, and to increase the
output level of the output unit when the received sound
is not identical to the sound of the pulse sequence.
[0022] In accordance with another exemplary aspect
of the present invention, a control method of a magnetic
resonance imaging (MRI) apparatus can include: com-
paring by a controller a sound acquired by a sound input
unit located in a bore to a pulse sequence sound stored
in advance; and increasing the output level of a sound
output unit located in a workstation to a predetermined
level if the acquired sound is not identical to the pulse
sequence sound.
[0023] The control method can further include de-
creasing the output level of the sound output unit to a
predetermined level if the acquired sound is identical to
the sound of the pulse sequence.
[0024] The comparing of the acquired sound to the
sound of the pulse sequence stored in advance can in-
clude: receiving a sound generated in a bore from the

sound input unit; determining a pulse sequence sound
that is to be compared to the received sound; and com-
paring the received sound to the decided pulse sequence
sound.
[0025] The determining of the pulse sequence sound
that is to be compared to the received sound can include:
checking a pulse sequence being used to scan a subject;
and determining a sound of the checked pulse sequence
with reference to sequence sound database in which pat-
terns of sounds that are respectively generated for a plu-
rality of pulse sequences are stored.
[0026] The increasing of the output level of the sound
output unit to the predetermined level can include: deter-
mining whether the acquired sound is identical to the
sound of the pulse sequence; eliminating a part of the
sound corresponding to the sound of the pulse sequence
from the acquired sound when the pattern of the acquired
sound is not identical to the pattern of the pulse sequence
sound; and increasing the output level of the sound output
unit to a predetermined level in order to output the sound
from which the sound of the pulse sequence has been
eliminated.
[0027] The increasing of the output level of the sound
output unit to the predetermined level can include: deter-
mining whether the acquired sound is identical to the
sound of the pulse sequence; eliminating a part of the
sound corresponding to the pulse sequence sound from
the acquired sound if the pattern of the acquired sound
is not identical to the pattern of the pulse sequence
sound; determining whether the sound from which the
pulse sequence sound has been eliminated is identical
to a subject’s voice stored in advance; and increasing
the output level of the sound output unit to a predeter-
mined level when the sound from which the pulse se-
quence sound has been eliminated is identical to the sub-
ject’s voice, in order to output the sound from which the
pulse sequence sound has been eliminated.
[0028] The control method can further include deter-
mining whether the acquired sound is identical to the
pulse sequence sound after increasing the output level
of the sound output unit to the predetermined level, and
decreasing, if the acquired sound is identical to the pulse
sequence sound, the output level of the sound output
unit to an original level to which the sound output unit
has been set before the output level of the sound output
unit increases.
[0029] The sound input unit can include, for example
a microphone, and may be located in the inside space
of the bore in which a subject is located.
[0030] In addition, a sound output unit for outputting a
sound transferred from the workstation may be provided
in the inside pace of the bore, and the sound output unit
can include a speaker. The sound input unit for allowing
an operator to input a sound to be transferred to the bore
may be provided in the workstation, and the sound input
unit may include a microphone.
[0031] According to an exemplary aspect of the
present invention, while a patient is scanned using the
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MRI apparatus, bidirectional communication can be per-
formed between the patient and an operator.
[0032] Also, workflow is improved because the volume
of a speaker is automatically adjusted without having to
manually adjusting a sound output unit, so that an oper-
ator can concentrate his or her attention on scanning.

BRIEF DESCRIPTION OF THE DRAWINGS

[0033] These and/or other exemplary aspects of the
invention will become apparent and more readily appre-
ciated from the following description of the embodiments,
taken in conjunction with the accompanying drawings of
which:

FIG. 1 is a control block diagram of a magnetic res-
onance imaging (MRI) apparatus in accordance with
an exemplary embodiment of the present invention;
FIG. 2 schematically shows the appearance of the
MRI apparatus;
FIG. 3 shows a subject lying in a space divided to x,
y, and z axes;
FIG. 4 shows the structures of a bore and a gradient
coil unit of the MRI apparatus;
FIG. 5 shows individual gradient coils configuring the
gradient coil unit and pulse sequences related to op-
eration of the individual gradient coils;
FIG. 6 is a view illustrating an exemplary process of
controlling the output level of a sound output unit in
the MRI apparatus;
FIG. 7 shows sound signals for individual pulse se-
quences that are stored in advance in sequence
sound database;
FIG. 8 shows an area at which the pattern of a sound
acquired by a sound input unit is not identical to the
pattern of a pulse sequence sound;
FIG. 9 is a view illustrating operation of outputting a
sound filtered by eliminating a part corresponding to
a pulse sequence sound from a sound acquired by
the sound input unit, through a sound output unit
whose volume level has been turned up;
FIG. 10 is a block diagram showing the configuration
of the sound output unit in detail; and
FIG. 11 is a flowchart showing exemplary operation
of a control method of a MRI apparatus, in accord-
ance with an exemplary embodiment of the present
invention.

DETAILED DESCRIPTION

[0034] Reference will now be made in detail to some
exemplary embodiments of the present invention, exam-
ples of which are illustrated in the accompanying draw-
ings, wherein like reference numerals refer to like ele-
ments throughout. An artisan should understand and ap-
preciate that the claimed invention is not limited to any
examples shown and described herein.
[0035] FIG. 1 is a control block diagram of a magnetic

resonance imaging (MRI) apparatus 100 in accordance
with one embodiment of the present invention.
[0036] Referring now to FIG. 1, the MRI apparatus 100
in accordance with an exemplary embodiment of the
present invention can include a bore 150 for forming a
magnetic field and generating resonance with respect to
atomic nuclei, a coil controller 120 for controlling the op-
eration of coils configuring the bore 150, an image proc-
essor 160 for receiving echo signals generated from the
atomic nuclei to create a magnetic resonance image, and
a workstation 110 for controlling the entire operation of
the MRI apparatus 100.
[0037] The bore 150 includes, for example, a static coil
unit 151 for forming a static field there inside, a gradient
coil unit 152 for forming gradient fields in the static field,
a RF coil unit 153 for applying RF pulses to excite atomic
nuclei and receiving echo signals from the atomic nuclei,
and a sound input unit 157 provided inside the bore 150
to acquire a sound generated in the bore 150 in which a
subject is also located,.
[0038] The coil controller 120 preferably includes a
static controller 121 for controlling the strength and di-
rection of a static field that is formed by the static coil unit
151, and a pulse sequence controller 122 for designing
a pulse sequence and controlling the gradient coil unit
152 and the RF coil unit 153 according to the pulse se-
quence. The coil controller includes circuitry such as a
processor, microprocessor, etc.
[0039] Also, the MRI apparatus 100 includes a gradient
applying unit 130 that outputs a gradient signal to the
gradient coil unit 152, and a RF applying unit 140 for
applying an RF signal to the RF coil unit 153, so that the
pulse sequence controller 122 controls the gradient ap-
plying unit 130 and the RF applying unit 140 to adjust a
gradient field that is formed in a static field and RF that
is applied to atomic nuclei.
[0040] In addition, the MRI apparatus 100 can include
the workstation 110 through which an operator can ma-
nipulate the MRI apparatus 100 and which receives con-
trol commands regarding the operation of the MRI appa-
ratus 100 from the operator.
[0041] The workstation 110 can include a manipulation
console 111 for allowing the operator to manipulate the
MRI apparatus 100, a display 112 for displaying a control
state and displaying an image created by the image proc-
essor 160 in order for the user to diagnose the health
state of a subject 200, a sound output unit 114 for out-
putting a sound acquired by the sound input unit 157
located in the bore 150, and a controller 113 configured
for comparing the sound acquired by the sound input unit
157 to a pulse sequence sound and adjust the output
level of the sound output unit 114 according to the result
of the comparison. Operation in which the controller 113
adjusts the output level of the sound output unit 114 will
be described in detail later.
[0042] FIG. 2 schematically shows a perspective view
of the MRI apparatus 100 having some of the external
structure cut away, FIG. 3 shows a subject lying in a
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space divided to x, y, and z axes, and FIG. 4 shows ex-
emplary structures of the bore 150 and the gradient coil
unit 152, and FIG. 5 shows exemplary structures of indi-
vidual gradient coils configuring the gradient coil unit 152
and pulse sequences related to operation of the individ-
ual gradient coils.
[0043] Hereinafter, the operation of the MRI apparatus
100 will now be described in detail with reference to FIG.
1.
[0044] The bore 150 is in the shape of a hollow cylinder,
and the inside space of the bore 150 is referred to as
cavity. A transfer unit 210 moves the subject 200 lying
thereon to the cavity in order to obtain a magnetic reso-
nance signal.
[0045] The bore 150 in this example includes a static
coil unit 151, a gradient coil unit 152, and an RF coil unit
153.
[0046] The static coil unit 151 can have a structure in
which coils are wound around the cavity, and when cur-
rent is applied to the static coil unit 151, a static field is
formed inside the bore 150, that is, in the cavity.
[0047] The direction of the static field is generally par-
allel to the concentric axis of the bore 150.
[0048] If the static field is formed in the cavity, the atom-
ic nuclei of atoms (specifically, hydrogen atoms) config-
uring the subject 200 are arranged in the direction of the
static field, and perform precession with respect to the
direction of the static field. The precession speed of the
atomic nuclei can be expressed, for example, as a pre-
cession frequency, which is called a Larmor frequency,
and may be represented by equation 1, below. 

where ω is the Larmor frequency, γ is a proportional con-
stant, and B0 is the strength of an external magnetic field.
The proportional constant depends on the kind of atomic
nuclei, the strength of the external magnetic field is meas-
ured in units of Tesla (T) or Gauss (G), and the precession
frequency is measured in units of Hz.
[0049] For example, hydrogen protons have a preces-
sion frequency of 42.58 MHz in an external magnetic field
of 1T. Since hydrogen atoms constitute a main portion
of atoms configuring the human body, the MRI acquires
a magnetic resonance signal using the precession of hy-
drogen protons.
[0050] The gradient coil unit 152 generates a gradient
in the static field formed in the cavity to form a gradient
magnetic field.
[0051] As shown in FIG. 3, an axis parallel to the up
and down direction from head to feet of the subject 200,
that is, an axis parallel to the direction of the static field
may be determined to be the z-axis, an axis parallel to
the left and right direction of the subject 200 may be de-
termined to be the x-axis, and an axis parallel to the up
and down direction in the 3-dimensional (3D) space may

be determined to be the y-axis.
[0052] In order to obtain 3D spatial information, gradi-
ent magnetic fields with respect to all of the x-, y-, and z-
axes are required. Accordingly, the gradient coil unit 152
includes three pairs of gradient coils.
[0053] As shown in FIGS. 4 and 5, z-axis gradient coils
154 are configured with a pair of ring-shaped coils, and
y-axis gradient coils 155 are positioned above and below
the subject 200. Also, x-axis gradient coils 156 are posi-
tioned in the left and right sides of the subject 200.
[0054] If direct currents having opposite polarities flow
through the respective z-axis gradient coils 154, a
change of a magnetic field in the z-axis direction occurs
so that a gradient magnetic field is formed. FIG. 5 shows
a pulse sequence corresponding to a z-axis gradient
magnetic field formed when the z-axis gradient coils 154
are in operation.
[0055] Since the greater gradient of the gradient mag-
netic field formed in the z-axis direction enables the thin-
ner slice to be selected, the z-axis gradient coils 154 are
used to select a slice.
[0056] If a slice is selected through the gradient mag-
netic field formed by the z-axis gradient coils 154, spins
configuring the corresponding slice have the same fre-
quency and phase, so that the individual spins cannot be
distinguished from each other.
[0057] In this state where spins configuring the corre-
sponding slice have the same frequency and phase, if a
gradient magnetic field in the y-axis direction is formed
by the y-axis gradient coils 155, the y-axis gradient mag-
netic field causes a phase shift such that the rows of the
slice have different phases.
[0058] More particularly, if the y-axis gradient magnetic
field is formed, the phases of the spins of rows to which
the greater gradient magnetic field has been applied
change to the higher frequencies, and the phases of the
spins of rows to which the smaller gradient magnetic field
has been applied change to the lower frequencies.
Thereafter, if the y-axis gradient magnetic field disap-
pears, phase shift occurs in the individual rows of the
selected slice so as for the rows to have different phases,
in order for the rows to be distinguished from each other.
As such, the gradient magnetic field formed by the y-axis
gradient coils 155 is used for phase encoding. FIG. 5
also shows a pulse sequence corresponding to the y-
axis gradient magnetic field formed when the y-axis gra-
dient coils 155 operate.
[0059] In summary, a slice is selected through the gra-
dient magnetic field formed by the z-axis gradient coils
154, and rows configuring the selected slice are distin-
guished to have different phases through the gradient
magnetic field formed by the y-axis gradient coils 155.
However, spins configuring each row still cannot be dis-
tinguished since they have the same frequency and
phase.
[0060] In this state, if a gradient magnetic field in the
x-axis direction is formed by the x-axis gradient coils 156,
the x-axis gradient magnetic field causes spins configur-
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ing each row to have different frequencies such that the
spins configuring each row can be distinguished from
each other. As such, the gradient magnetic field formed
by the x-axis gradient coils 156 is used for frequency
encoding.
[0061] As described above, the gradient magnetic
fields respectively formed by the z-, y-, and x-axis gradi-
ent coils spatially encode the spatial locations of individ-
ual spins through slice selection, phase encoding, and
frequency encoding.
[0062] With reference again to FIG. 1, the gradient coil
unit 152 is connected to the gradient applying unit 130,
and the gradient applying unit 130 applies (outputs) a
driving signal to the gradient coil unit 152 according to a
control signal received from the pulse sequence control-
ler 122 to generate gradient magnetic fields. The gradient
applying unit 130 can include three driving circuits in cor-
respondence to three types of gradient coils 154, 155,
and 156 configuring the gradient coil unit 152.
[0063] As described above, atomic nuclei arranged by
an external magnetic field perform precession at the Lar-
mor frequency, and a sum of magnetization vectors of
some atomic nuclei may be represented as net magnet-
ization "M".
[0064] The z-axis component of the net magnetization
M cannot be measured, and only Mxy can be detected.
Accordingly, in order to obtain a magnetic resonance sig-
nal, the atomic nuclei should be excited so that net mag-
netization M exists on the xy plane. For excitation of atom-
ic nuclei, it is necessary to apply a RF pulse tuned to the
Larmor frequency of the atomic nuclei to the static field.
[0065] The RF coil unit 153 includes a transmission
coil for transmitting the RF pulse, and a reception coil for
receiving electromagnetic waves, that is, a magnetic res-
onance signal released from excited atomic nuclei
[0066] The RF coil unit 153 is connected to the RF
applying unit 140, and the RF applying unit 140 applies
(outputs) a driving signal to the RF coil unit 153 according
to a control signal received from the pulse sequence con-
troller 122 so that the RF coil unit 153 transmits the RF
pulse.
[0067] The RF applying unit 140 includes circuitry such
as a modulation circuit for modulating a high frequency
output signal to a pulse type signal, and a RF power am-
plifier for amplifying the pulse type signal.
[0068] Also, the RF coil unit 153 is connected to the
image processor 160, and the image processor 160 can
include a data collecting unit 161 for receiving data re-
garding a magnetic resonance signal generated from
atomic nuclei, and a data processor 163 for processing
data collected by the data collecting unit 161 to create a
magnetic resonance image.
[0069] The data collecting unit 161 includes circuitry
such as a preamplifier for amplifying the magnetic reso-
nance signal received by the reception coil of the RF coil
unit 153, a phase detector for receiving the magnetic res-
onance signal from the preamplifier to detect the phase
of the magnetic resonance signal, and an A/D converter

for converting the analog signal acquired by the phase
detection to a digital signal. Also, the data collecting unit
161 transmits the digitalized magnetic resonance signal
to a data storage unit 162.
[0070] In the data storage unit 162, a data space con-
figuring a 2D Fourier space is formed, and after scanned
data is all stored in the data storage unit 162, the data
processor 163 performs 2D Inverse-Fourier Transform
on data in the 2D Fourier space to reconfigure an image
about the subject 200. The reconfigured image is dis-
played on the display 112.
[0071] In a method for acquiring a magnetic resonance
signal from atomic nuclei, a spin echo pulse sequence
has been widely used. If the RF coil unit 153 sequentially
applies two RF pulses with a predetermined time interval
Δt in between, strong transverse magnetization occurs
in atomic nuclei when the time interval Δt has again
elapsed, and a magnetic resonance signal may be ac-
quired through the strong transverse magnetization. This
method is called a spin echo pulse sequence. A time
period taken until the magnetic resonance signal is gen-
erated from when the first RF pulse has been applied is
time echo (TE).
[0072] A degree at which protons have been flipped
can be represented as an angle at which the protons
have moved away from an axis on which they have been
positioned before flipped, and the corresponding RF
pulse may be represented as a, for example, 90° RF
pulse, a 180° RF pulse, etc., according to the degree of
flip.
[0073] FIG. 6 is a illustrates a process of controlling
the output level of the sound output unit 114 in the MRI
apparatus 100, FIG. 7 shows sound signals for individual
pulse sequences that are stored in advance in the se-
quence sound database 115, FIG. 8 shows an area at
which the pattern of a sound acquired by the sound input
unit 157 is not identical (mismatch) to the pattern of a
pulse sequence sound, and FIG. 9 is illustrates operation
of outputting a sound filtered by eliminating a part corre-
sponding to a pulse sequence sound from a sound ac-
quired by the sound input unit 157, through a sound out-
put unit whose volume level has been turned up.
[0074] The sound input unit 157, which is typically lo-
cated in the cavity of the bore 150, acquires sounds gen-
erated when the MRI apparatus 100 is driven, and the
acquired sounds are converted to electrical signals and
transferred to the workstation 110 (see FIG. 1) located
in a scan room. The signals are output as sounds through
the sound output unit 114 located in the workstation 110.
[0075] Generally, sounds that are generated when a
MRI apparatus is driven is due to the vibration of coils by
the Lorentz force that is generated when a current is ap-
plied to gradient coils in order to form gradient magnetic
fields suitable for a specific scanning protocol.
[0076] In other words, the sounds acquired by the
sound input unit 157 are mainly due to driving of the gra-
dient coil unit. Sounds that are generated by pulse se-
quences corresponding to driving patterns of the gradient
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coil unit have predetermined patterns.
[0077] Accordingly, sounds corresponding to the pre-
determined patterns of pulse sequences are catalogued
in a database to establish the sequence sound database
115, and the database 115 is stored in advance in the
workstation 110 in order for the controller 113 (see FIG.
1) to adjust the output level of the sound output unit 114
with reference to the database 115.
[0078] As described above, since a sound acquired by
the sound input unit 157 is a sound generated by the
gradient coil unit that is driven according to a pulse se-
quence, the sound will have the same pattern as a sound
of the corresponding pulse sequence stored in the se-
quence sound database 115.
[0079] However, if a different sound from sounds that
are generated by driving of the gradient coil unit is gen-
erated, the pattern of a sound acquired by the sound
input unit 157 will be different from the pattern of a sound
that is generated by the corresponding pulse sequence.
[0080] For example, if the sound input unit 157 has
acquired a sound generated when a patient has spoken
or taken a certain action or actions in order to inform the
operator of discomfort or an emergency situation during
scanning, the pattern of the acquired sound becomes
different from the pattern of a sound that is generated by
the corresponding pulse sequence.
[0081] Generally, since noise that is generated by a
pulse sequence is very loud and not comparable to a
voice, operators tend to do a scan after setting the volume
of the sound output unit 114 (that is, a speaker) located
in the workstation 110 to nearly zero. However, in this
case, when the patient speaks in order to inform the op-
erator of an emergency situation (or speaks for some
other reason), an operator cannot respond to the patient.
Accordingly, the MRI apparatus 100 according to the
present exemplary embodiment provides a method of
comparing a sound acquired by the sound input unit 157
to a pulse sequence sound to automatically adjust the
output level of the sound output unit 114 according to the
result of the comparison.
[0082] Referring now to FIG. 6, the sound input unit
157 located in the cavity of the bore 150, a microphone
acquires a sound generated in the bore 150 when a sub-
ject is scanned, and transfers the acquired sound to the
controller 113 of the workstation 110.
[0083] As described above, the sound acquired by the
sound input unit 157 may be a sound generated by a
pulse sequence being used to scan the subject, or a
mixed sound in which another sound, such as a patient’s
voice, etc., that is mixed with the sound generated by the
corresponding pulse sequence.
[0084] If the controller 113 of the workstation 110 re-
ceives the sound generated in the bore 150 from the
sound input unit 157, the controller 113 searches for a
sound in the sequence sound database 115 that is to be
compared to the received sound. More particularly, the
controller 113 searches in the sequence sound database
115 for sound information about a pulse sequence being

currently used to scan the subject, , and determines the
found sound as a sound that is to be compared to the
sound received from the sound input unit 157.
[0085] As shown in FIG. 7, the sequence sound data-
base 115 stores sounds that are generated by various
kinds of pulse sequences (e.g. sequence A, B, C, D, etc.)
registered in the MRI apparatus (100 of FIG. 1) to be
used to scan a subject.
[0086] Since sounds that are generated by the same
pulse sequence make the same pattern of sound, the
database 115 can be established by storing sounds of
individual pulse sequences.
[0087] After a pulse sequence sound is determined,
the controller 113 compares the sound received from the
sound input unit 157 to the pulse sequence sound to de-
termine whether the received sound is identical to the
pulse sequence sound.
[0088] FIG. 8 shows an area at which the pattern of
the sound received from the sound input unit 157 is not
identical to the pattern of the pulse sequence sound.
[0089] If another sound, such as a patient’s voice, etc.,
is mixed with the pulse sequence sound, the sound ac-
quired by the sound input unit 157 has a different pattern
from that of the pulse sequence sound.
[0090] If the controller 113 determines that the pattern
of the received sound is not identical to the pattern of the
pulse sequence sound (i.e. a "pattern mismatch"), the
controller 113 increases the output level of the sound
output unit 114 located in the workstation 110 to a pre-
determined level in order to inform the operator of the
generation of a different sound from the pulse sequence
sound in the bore 150.
[0091] Generally, the output level of the sound output
unit 114 is set to a minimum level close to zero. Since
noise that is generated by a pulse sequence is very loud,
an operator will not be able to concentrate his or her
attention on scanning a subject while the noise is being
directly output to an operating room through the sound
output unit 114, increasing a potential for the operator to
fail to properly scan the subject.
[0092] However, since a pattern mismatch between
the two sounds means that a sound other than the pulse
sequence sound has been generated (pulse sequence
generated sound) in the bore 150, which increases the
probability that the patient experiences an unexpected
situation, so it is therefore necessary to transfer the sound
acquired by the sound input unit 157 through the sound
output unit 114 so that the operator can recognize the
situation. Accordingly, the output level of the sound out-
put unit 114 which has outputted sounds at a low output
level increases to the predetermined level. The prede-
termined level may be set to an appropriate level at which
the operator can recognize a sound.
[0093] Meanwhile, if the patterns of the two sounds are
identical to each other when the output level of the sound
output unit 114 has been set to a normal output level,
instead of the minimum level close to zero, this means
that only the sound caused by the pulse sequence has
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been generated, and accordingly, the output level of the
sound output unit 114 decreases to the minimum level
close to zero.
[0094] FIG. 9 is a illustrates an exemplary operation of
eliminating a part corresponding to a pulse sequence
sound from a sound acquired by the sound input unit 157
to filter sounds generated by different causes, not by the
pulse sequence.
[0095] Since a sound that will be transferred to the op-
erator through the sound output unit 114 needs not to
include the pulse sequence sound, the pulse sequence
sound is eliminated from the sound acquired by the sound
input unit 157 such that only sounds generated by other
causes, not by the pulse sequence are output through
the sound output unit 114. This filtering makes the sounds
generated by other causes to be more audible by the
operator.
[0096] In other words, sounds from which the pulse
sequence sound has been eliminated are transferred to
the operator through the sound output unit 114 whose
output level has increased. Since the output level of the
sound output unit 114 is automatically adjusted, the op-
erator can concentrate his or her attention on scanning
without having to manually adjust the sound output unit
114.
[0097] For bidirectional communication between a pa-
tient and an operator, a sound output unit through which
the operator’s voice is output, other than the sound input
unit 157, may be further provided inside the bore 150,
and a sound input unit for allowing the operator to input
his or her voice in order to transfer a message to the
patient lying inside the bore 150 may be further provided
in the workstation 110. The sound output unit 114 can
be, for example a speaker, and the sound input unit 157
can be, for example a microphone.
[0098] Also, it within the spirit and scope of the inven-
tion to control the sound output unit 114 to adjust the
output level of the sound output unit 114 only when
sounds generated by different causes from pulse se-
quences are a patient’s voice.
[0099] In this case, if a sound acquired by the sound
input unit 157 is not identical to a pulse sequence sound,
a part of the sound corresponding to the pulse sequence
sound is eliminated from the acquired sound to extract a
sound generated by causes other than from the pulse
sequence.
[0100] The extracted sound is compared to a patient’s
voice stored in advance, and if the pattern of the extracted
sound is identical to the pattern of the patient’s voice, the
extracted sound is determined to be the patient’s voice,
so that the output level of the sound output unit 114 in-
creases to the predetermined level. In order to register
the voice of a patient to be scanned, an identification
procedure including a process of registering a patient’s
voice may be performed before scanning.
[0101] FIG. 10 is a block diagram showing the config-
uration of the sound output unit 114 in detail.
[0102] The sound output unit 114 includes various

hardware comprising a receiving part 116 for receiving
a sound acquired by the sound input unit 157 (see FIG.
1), an output part 118 for outputting the sound received
by the receiving part 116, and an output adjusting part
117 for comparing the sound received by the receiving
part 116 to a pulse sequence sound stored in advance
to adjust the output level of the output part 118.
[0103] As described above with reference to FIG. 6,
the output level of the sound output unit 114 may be ad-
justed under the control of the workstation controller 113,
or the sound output unit 114 itself may receive a sound
acquired by the sound input unit 157 and adjust the output
level of the sound output unit 114, like the workstation
controller 113.
[0104] FIG. 11 is a flowchart showing a control method
of a MRI apparatus, in accordance with one embodiment
of the present invention.
[0105] Referring now to FIGS. 1 and 11, at (300) the
sound input unit 157 acquires a sound generated in the
bore 150 and transmits the sound to the workstation 110,
and the controller 113 of the workstation 110 receives
the sound.
[0106] The sound acquired by the sound input unit 157
may be a sound generated by a pulse sequence being
used to scan a subject, or a mixed sound in which another
sound, such as a patient’s voice, etc., is mixed with the
sound generated by the corresponding pulse sequence.
[0107] After receiving the sound generated in the bore
150 from the sound input unit 157, then at (310) the con-
troller 113 searches for a pulse sequence sound that is
to be compared to the received sound, in the sequence
sound database 115, to determine a pulse sequence
sound.
[0108] In other words, the controller 113 searches for
sound information about a pulse sequence being current-
ly used to scan a subject, in the sequence sound data-
base 115, and determine a sound that is to be compared
to the sound received from the sound input unit 157.
[0109] As shown in FIG. 7, the sequence sound data-
base 115 stores sounds that are generated by various
kinds of pulse sequences registered in a MRI apparatus
to be used to scan a subject.
[0110] Since sounds that are generated by the same
pulse sequence make the same pattern of sound, the
database 115 may be established by storing sounds of
individual pulse sequences.
[0111] After the pulse sequence sound is decided, at
(320) the controller 113 compares the sound received
from the sound input unit 157 to the pulse sequence
sound.
[0112] Then at (330) the controller determines whether
the received sound is identical to the pulse sequence
sound.
[0113] At (330) when the received sound is not identi-
cal to the pulse sequence sound, then at (340) a part
corresponding to the pulse sequence sound is eliminated
from the received sound, and at (350) the output level of
the sound output unit 114 increases to a predetermined
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level, and at (360) the resultant sound whose part corre-
sponding to the pulse sequence sound has been elimi-
nated is output through the sound output unit 114.
[0114] FIG. 8 shows an area at which the pattern of a
sound acquired by the sound input unit 157 is not identical
to the pattern of a pulse sequence sound.
[0115] If another sound, such as a patient’s voice, etc.,
is mixed with a pulse sequence sound, a sound acquired
by the sound input unit 157 has a pattern different (e.g.
non-identical) from the pulse sequence sound.
[0116] When the controller 113 determines that the
pattern of the received sound is not identical to the pattern
of the pulse sequence sound, the controller 113 deter-
mines that another sound than the pulse sequence sound
has been generated in the bore 150, and increases the
output level of the sound output unit 114 located in the
workstation 110 to a predetermined level in order to in-
form an operator of the generation of the other sound.
[0117] Generally, the output level of the sound output
unit 114 is set to a minimum level close to zero. Since
noise that is generated by a pulse sequence is very loud,
an operator will not be able to concentrate his or her
attention on scanning a subject if the noise is directly
output to an operating room through the sound output
unit 114, so that the operator may fail to properly scan
the subject.
[0118] However, since pattern mismatch between the
two sounds means that another sound than the sound
caused by the pulse sequence has been generated in
the bore 150, which may mean high probability that the
patient experiences an unexpected situation, it is neces-
sary to transfer the sound acquired by the sound input
unit 157 through the sound output unit 114 so that the
operator can recognize the situation. Accordingly, the
output level of the sound output unit 114 which has output
sounds at a low output level increases to the predeter-
mined level. The predetermined level may be set to an
appropriate level at which the operator can recognize a
sound.
[0119] FIG. 9 is a view for explaining operation of elim-
inating a part corresponding to a pulse sequence sound
from a sound acquired by the sound input unit 157 to filter
sounds generated by different causes, not by the pulse
sequence.
[0120] Since a sound that will be transferred to the op-
erator through the sound output unit 114 does not need
to include the pulse sequence sound, the pulse sequence
sound is eliminated from the sound acquired by the sound
input unit 157 such that only sounds generated by other
causes, not by the pulse sequence are output through
the sound output unit 114.
[0121] In other words, sounds from which the pulse
sequence sound has been eliminated are transferred to
the operator through the sound output unit 114 whose
output level has increased. Since the output level of the
sound output unit 114 is automatically adjusted, the op-
erator can concentrate his or her attention on scanning
without having to manually adjusting the sound output

unit 114.
[0122] After (360) where the output level of the sound
output unit 114 increases to the predetermined level, at
(370) the controller 113 again determines whether the
sound received from the sound input unit 157 is identical
to the pulse sequence sound, and if the received sound
is identical to the pulse sequence sound, at (380) the
controller 113 decreases the output level of the sound
output unit 114 to its original level to which the sound
output unit 114 has been set before the output level of
the sound output unit 114 increases.
[0123] The fact that the sound received from the sound
input unit 157 is identical to the pulse sequence sound
means that only the pulse sequence sound exists in the
bore 150, and accordingly, the controller 113 returns the
output level of the sound output unit 114 to its original
level.
[0124] As the result of operation 320 of comparing the
sound received from the sound input unit 157 to the pulse
sequence sound, if it is determined at (330) that the re-
ceived sound is identical to the pulse sequence sound,
at (390) it is determined whether the output level of the
sound output unit 114 corresponds to a predetermined
level. If at (390) the output level of the sound output unit
114 does not correspond to the predetermined level, at
(400) the controller 113 decreases the output level of the
sound output unit 114 to the predetermined level. As de-
scribed above, generally, the output level of the sound
output unit 114 is set to a minimum level close to zero.
Since noise that is generated by a pulse sequence is very
loud, an operator will not be able to concentrate his or
her attention on scanning a subject if the noise is directly
output to an operating room through the sound output
unit 114, so that the operator may fail to properly scan
the subject. However, since there may be some other
cases, operation 390 is performed. In other words, the
predetermined level is a minimum level close to zero.
[0125] Also, it is within the spirit and scope of the in-
vention to control the sound output unit 114 to adjust the
output level of the sound output unit 114 only when
sounds generated by different causes from pulse se-
quences are a patient’s voice.
[0126] In such a case as described in the above par-
agraph, if a sound acquired from the sound input unit 157
is not identical to a pulse sequence sound, a part corre-
sponding to the pulse sequence sound is eliminated from
the acquired sound to extract a sound generated by dif-
ferent causes from the pulse sequence.
[0127] The extracted sound is compared to a patient’s
voice stored in advance, and if the pattern of the extracted
sound is identical to the pattern of the patient’s voice, the
extracted sound is determined to be the patient’s voice,
so that the output level of the sound output unit 114 in-
creases to a predetermined level. In other words , oper-
ation of determining whether an extracted sound is iden-
tical to a patient’s voice stored in advance may be added
between operation 340 and operation 350.
[0128] In order to register the voice of a patient to be
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scanned, an identification procedure including a process
of registering a patient’s voice may be performed before
scanning.
[0129] It is also within the spirit and scope of the inven-
tion to have various voice samples to compare the ex-
tracted sound to identify the sound as a voice. Also as
voice frequencies are considered in telephony to be
300-3000HZ. The voice of a typical adult male will have
a fundamental frequency from 85 to 180 Hz, and that of
a typical adult female from 165 to 255 Hz, so there are
numerous ways within the spirit and scope of the inven-
tion to determine whether the extracted sound is a pa-
tient’s voice.
[0130] The above-described methods according to the
present invention can be implemented in hardware,
firmware or as software or computer code that configures
hardware for operation, and is stored on a non-transitory
machine readable medium such as a CD ROM, DVD,
RAM, a floppy disk, a hard disk, or a magneto-optical
disk, such as a floptical disk or computer code download-
ed over a network originally stored on a remote recording
medium or a non-transitory machine readable medium
and stored on a local non-transitory recording medium,
so that the methods described herein can be loaded into
hardware such as a general purpose computer, or a spe-
cial processor or in programmable or dedicated hard-
ware, such as an ASIC or FPGA. As would be understood
in the art, the computer, the processor, microprocessor
controller or the programmable hardware include mem-
ory components, e.g., RAM, ROM, Flash, etc. that may
store or receive software or computer code that when
accessed and executed by the computer, processor or
hardware implement the processing methods described
herein. In addition, it would be recognized that when a
general purpose computer accesses code for implement-
ing the processing shown herein, the execution of the
code transforms the general purpose computer into a
special purpose computer for executing the processing
shown herein. In addition, an artisan understands and
appreciates that a "processor" or "microprocessor" com-
prises hardware in the claimed invention. The terms "unit"
or "module" as used herein is to be understood as con-
stituting subject-matter that includes hardware and does
not constitute software per se. When a unit or module
includes machine executable code it is to be understood
that a non-transitory machine readable medium contains
the machine executable code that is loaded into hard-
ware such as a processor or controller for execution and
configures the processor or controller for operation.
[0131] Although a few exemplary embodiments of the
present invention have been shown and described, those
of ordinary skill in the art understand and appreciate that
various changes may be made in the examples shown
and described herein without departing from the scope
of the invention, which is defined in the claims and their
equivalents.

Claims

1. A magnetic resonance imaging (MRI) apparatus
comprising:

a sound input unit (157);
a sound output unit (114) configured to output a
sound acquired by the sound input unit (157);
a controller (113) configured to compare the ac-
quired sound to a sound generated by a pulse
sequence corresponding to a driving pattern of
a gradient coil unit, characterised in that the
controller is further configured to increase an
output level of the sound output unit (114) when
the acquired sound is not identical to the sound
generated by the pulse sequence; and
a sequence sound database (115) configured
to store patterns of sounds that are respectively
generated for a plurality of pulse sequences reg-
istered in the MRI apparatus when a subject
(200) is scanned according to at least one of the
pulse sequences.

2. The MRI apparatus according to claim 1, character-
ized in that when the acquired sound is identical to
the sound generated by the pulse sequence, the con-
troller (113) decreases the output level of the sound
output unit (114) to a predetermined level.

3. The MRI apparatus according to claim 1 or 2, char-
acterized in that the controller (113) checks a pulse
sequence being used to scan a subject, receives a
sound generated in a bore from the sound input unit
(157), compares the received sound to a sound gen-
erated by the checked pulse sequence, and increas-
es the output level of the sound output unit to a pre-
determined level when a pattern of the received
sound is not identical to a pattern of the checked
pulse sequence generated sound.

4. The MRI apparatus according to any of claims 1-3,
characterized in that when a pattern of the acquired
sound is not identical to a pattern of the pulse se-
quence generated sound, the controller (113) elim-
inates a part corresponding to the pulse sequence
generated sound from the acquired sound, increas-
es the output level of the sound output unit to a pre-
determined level, and outputs the sound from which
the pulse sequence generated sound has been elim-
inated, through the sound output unit (114) whose
output level has increased to the predetermined lev-
el.

5. The MRI apparatus according to any of claims 1-4,
characterized in that when a pattern of the acquired
sound is not identical to a pattern of the pulse se-
quence generated sound, the controller (113) elim-
inates a part of the acquired sound corresponding
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to the pulse sequence generated sound from the ac-
quired sound, and determines whether the sound
from which the pulse sequence generated sound has
been eliminated is identical to a subject’s voice, in-
creases the output level of the sound output unit to
a predetermined level if the sound from which the
pulse sequence generated sound has been eliminat-
ed is identical to the subject’s voice, and outputs the
sound from which the pulse sequence generated
sound has been eliminated, through the sound out-
put unit (114) whose output level has increased to
the predetermined level.

6. The MRI apparatus according to any of claims 1-5,
characterized in that when the controller (113) de-
termines that a pattern of the acquired sound is iden-
tical to a generated pattern of the pulse sequence
sound after increasing the output level of the sound
output unit (114), the controller (113) decreases the
output level of the sound output unit to an original
level to which the sound output unit has been set
before the output level of the sound output unit in-
creases.

7. A control method of a magnetic resonance imaging
(MRI) apparatus, comprising:

comparing a sound acquired by a sound input
unit to a sound generated by a pulse sequence;
characterised in increasing the output level of
a sound output unit to a predetermined level
when the acquired sound is not identical to the
sound generated by the pulse sequence; where-
by
the comparing of the acquired sound to the
sound generated by the pulse sequence stored
in advance comprises: receiving a sound gen-
erated in a bore from the sound input unit;
determining a pulse sequence generated sound
that is to be compared to the received sound;
and comparing the received sound to the deter-
mined pulse sequence generated sound.

8. The control method according to claim 7, further
comprising decreasing the output level of the sound
output unit to a predetermined level when the ac-
quired sound is identical to the sound generated by
the pulse sequence.

9. The control method according to claim 7 or 8, char-
acterized in that the comparing of the acquired
sound to the sound generated by the pulse sequence
stored in advance comprises:

receiving a sound generated in a bore from the
sound input unit;
determining a pulse sequence generated sound
that is to be compared to the received sound;

and
comparing the received sound to the determined
pulse sequence generated sound.

10. The control method according to claim 7, character-
ized in that the increasing of the output level of the
sound output unit to the predetermined level com-
prises:

determining whether the acquired sound is iden-
tical to the sound generated by the pulse se-
quence;
eliminating a part of the acquired sound corre-
sponding to the sound generated by the pulse
sequence from the acquired sound when a pat-
tern of the acquired sound is not identical to a
pattern of the generated pulse sequence sound;
and
increasing the output level of the sound output
unit to a predetermined level in order to output
the sound from which the sound of the generated
pulse sequence has been eliminated.

11. The control method according to any of claims 8-10,
characterized in that the increasing of the output
level of the sound output unit to the predetermined
level comprises:

determining whether the acquired sound is iden-
tical to the sound generated by the pulse se-
quence;
eliminating a part of the acquired sound corre-
sponding to the generated pulse sequence
sound from the acquired sound when the pattern
of the acquired sound is not identical to a pattern
of the generated pulse sequence sound;
determining whether the sound from which the
generated pulse sequence sound that has been
eliminated is identical to a subject’s voice stored
in advance; and
increasing the output level of the sound output
unit to a predetermined level when the sound
from which the generated pulse sequence
sound which has been eliminated is identical to
the subject’s voice, in order to output the sound
from which the pulse sequence sound has been
eliminated.

12. The control method according to any of claims 8-11
further comprising determining whether the acquired
sound is identical to the generated pulse sequence
sound after increasing the output level of the sound
output unit to the predetermined level, and decreas-
ing, when the acquired sound is identical to the gen-
erated pulse sequence sound, the output level of the
sound output unit to an original level to which the
sound output unit has been set before the output
level of the sound output unit increases.
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Patentansprüche

1. Magnetresonanztomographievorrichtung (MRT-
Vorrichtung), die umfasst:

eine Toneingabeeinheit (157);
eine Tonausgabeeinheit (114), die dazu konfi-
guriert ist, einen von der Toneingabeeinheit
(157) erfassten Ton auszugeben;
eine Steuerung (113), die dazu konfiguriert ist,
den erfassten Ton mit einem von einer Impuls-
sequenz, die einem Antriebsmuster einer Gra-
dientenspuleneinheit entspricht, erzeugten Ton
zu vergleichen, dadurch gekennzeichnet,
dass die Steuerung weiterhin dazu konfiguriert
ist, einen Ausgangspegel der Tonausgabeein-
heit (114) zu erhöhen, wenn der erfasste Ton
nicht mit dem von der Impulssequenz erzeugten
Ton identisch ist; und
eine Sequenztondatenbank (115), die dazu kon-
figuriert ist, Tonmuster zu speichern, die jeweils
für eine Mehrzahl von Impulssequenzen, die in
der MRT-Vorrichtung registriert sind, erzeugt
wurden, wenn ein Subjekt (200) gemäß wenigs-
tens einer der Impulssequenzen abgetastet
wird.

2. MRT-Vorrichtung gemäß Anspruch 1, dadurch ge-
kennzeichnet, dass wenn der erfasste Ton mit dem
Ton identisch ist, der von der Impulssequenz erzeugt
worden ist, die Steuerung (113) den Ausgangspegel
der Tonausgabeeinheit (114) auf einen vorbestimm-
ten Pegel senkt.

3. MRT-Vorrichtung gemäß Anspruch 1 oder 2, da-
durch gekennzeichnet, dass die Steuerung (113)
eine Impulssequenz, die zum Abtasten eines Sub-
jekts verwendet wird, überprüft, einen in einer Röhre
von der Toneingabeeinheit (157) erzeugten Ton
empfängt, den empfangenen Ton mit einem von der
überprüften Impulssequenz erzeugten Ton ver-
gleicht, und den Ausgangspegel der Tonausgabe-
einheit auf einen vorbestimmten Pegel erhöht, wenn
ein Muster des empfangenen Tons nicht mit dem
Muster des von der überprüften Impulssequenz er-
zeugten Tons identisch ist.

4. MRT-Vorrichtung gemäß einem der Ansprüche 1 bis
3, dadurch gekennzeichnet, dass wenn ein Muster
des erfassten Tons nicht mit dem Muster des von
der überprüften Impulssequenz erzeugten Tons
identisch ist, die Steuerung (113) einen Teil, der dem
von der Impulssequenz erzeugten Ton entspricht,
aus dem erfassten Ton entfernt, den Ausgangspegel
der Tonausgabeeinheit auf einen vorbestimmten
Pegel erhöht, und den Ton, von dem der Ton entfernt
wurde, welcher von der Impulssequenz erzeugt wor-
den ist, durch die Tonausgabeeinheit (114), deren

Ausgangspegel auf den vorbestimmten Pegel er-
höht worden ist, ausgibt.

5. MRT-Vorrichtung gemäß einem der Ansprüche 1 bis
4, dadurch gekennzeichnet, dass wenn ein Muster
des erfassten Tons nicht mit dem Muster des von
der überprüften Impulssequenz erzeugten Tons
identisch ist, die Steuerung (113) einen Teil des er-
fassten Tons, der dem von der Impulssequenz er-
zeugten Ton entspricht, aus dem erfassten Ton ent-
fernt, und feststellt, ob der Ton, von dem der Ton
entfernt wurde, welcher von der Impulssequenz er-
zeugt worden ist, mit der Stimme eines Subjekts
identisch ist, den Ausgangspegel der Tonausgabe-
einheit auf einen vorbestimmten Pegel erhöht, wenn
der Ton, von dem der Ton entfernt wurde, welcher
von der Impulssequenz erzeugt worden ist, mit der
Stimme des Subjekts identisch ist, und den Ton, von
dem der Ton entfernt wurde, welcher von der Im-
pulssequenz erzeugt worden ist, durch die Tonaus-
gabeeinheit (114), deren Ausgangspegel auf den
vorbestimmten Pegel erhöht worden ist, ausgibt.

6. MRT-Vorrichtung gemäß einem der Ansprüche 1 bis
5, dadurch gekennzeichnet, dass wenn die Steu-
erung (113) feststellt, dass das Muster des erfassten
Tons mit dem Muster des von der Impulssequenz
erzeugten Tons identisch ist, nachdem der Aus-
gangspegel der Tonausgabeeinheit (114) erhöht
worden ist, die Steuerung (113) den Ausgangspegel
der Tonausgabeeinheit auf einen ursprünglichen
Pegel senkt, auf den die Tonausgabeeinheit einge-
stellt war, bevor der Ausgangspegel der Tonausga-
beeinheit erhöht wurde.

7. Steuerungsverfahren für eine Magnetresonanzto-
mographievorrichtung (MRT-Vorrichtung), wobei
das Verfahren umfasst:

Vergleichen eines durch eine Toneingabeein-
heit erfassten Tons mit einem von einer Impuls-
sequenz erzeugten Ton; gekennzeichnet
durch
ein Erhöhen des Ausgangspegels einer Ton-
ausgabeeinheit auf einen vorbestimmten Pegel,
wenn der erfasste Ton nicht mit dem von der
Impulssequenz erzeugten Ton identisch ist; wo-
bei das Vergleichen des erfassten Tons mit dem
im Vorhinein gespeicherten, von der Impulsse-
quenz erzeugten Ton umfasst: Empfangen ei-
nes in einer Röhre von der Toneingabeeinheit
erzeugten Tons; Feststellen eines von einer Im-
pulssequenz erzeugten Tons, der mit dem emp-
fangenen Ton verglichen werden soll; und Ver-
gleichen des empfangenen Tons mit dem fest-
gestellten, von der Impulssequenz erzeugten
Ton.
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8. Steuerungsverfahren gemäß Anspruch 7, das wei-
terhin umfasst:

Senken des Ausgangspegels der Tonausgabe-
einheit auf einen vorbestimmten Pegel, wenn
der erfasste Ton mit dem von der Impulsse-
quenz erzeugten Ton identisch ist.

9. Steuerungsverfahren gemäß Anspruch 7 oder 8, da-
durch gekennzeichnet,
dass das Vergleichen des erfassten Tons mit dem
von der Impulssequenz erzeugten und im Vorhinein
gespeicherten Ton umfasst:

Empfangen eines in einer Röhre von der Ton-
eingabeeinheit erzeugten Tons;
Feststellen eines von einer Impulssequenz er-
zeugten Tons, der mit dem empfangenen Ton
verglichen werden soll; und
Vergleichen des empfangenen Tons mit dem
festgestellten, von der Impulssequenz erzeug-
ten Ton.

10. Steuerungsverfahren gemäß Anspruch 7, dadurch
gekennzeichnet, dass das Erhöhen des Ausgangs-
pegels der Tonausgabeeinheit auf den vorbestimm-
ten Pegel umfasst:

Feststellen, ob der erfasste Ton mit dem von der
Impulssequenz erzeugten Ton identisch ist;
Entfernen eines Teils des erfassten Tons, der
dem von der Impulssequenz erzeugten Ton ent-
spricht, aus dem erfassten Ton, wenn das Mus-
ter des erfassten Tons nicht mit dem Muster des
von der Impulssequenz erzeugten Tons iden-
tisch ist; und
Erhöhen des Ausgangspegels der Tonausga-
beeinheit auf einen vorbestimmten Pegel, um
den Ton auszugeben, von dem der Ton entfernt
wurde, welcher von der Impulssequenz erzeugt
worden ist.

11. Steuerungsverfahren gemäß einem der Ansprüche
8 bis 10,
dadurch gekennzeichnet, dass das Erhöhen des
Ausgangspegels der Tonausgabeeinheit auf den
vorbestimmten Pegel umfasst:

Feststellen, ob der erfasste Ton mit dem von der
Impulssequenz erzeugten Ton identisch ist;
Entfernen eines Teils des erfassten Tons, der
dem von der Impulssequenz erzeugten Ton ent-
spricht, aus dem erfassten Ton, wenn das Mus-
ter des erfassten Tons nicht mit dem Muster des
von der Impulssequenz erzeugten Tons iden-
tisch ist; und
Feststellen, ob der Ton, von dem der von der
Impulssequenz erzeugte Ton entfernt wurde,

mit der Stimme eines Subjekts, die im Vorhinein
gespeichert worden ist, identisch ist; und Erhö-
hen des Ausgangspegels der Tonausgabeein-
heit auf einen vorbestimmten Pegel, wenn der
Ton, von dem der von der Impulssequenz er-
zeugte Ton, der entfernt worden ist, mit der Stim-
me des Subjekts identisch ist, um den Ton, von
dem der von der Impulssequenz erzeugte Ton
entfernt wurde, auszugeben.

12. Steuerungsverfahren gemäß einem der vorange-
gangenen Ansprüche 8 bis 11, wobei das Verfahren
weiterhin umfasst:

Feststellen, ob der erfasste Ton mit dem von der
Impulssequenz erzeugten Ton identisch ist,
nachdem der Ausgangspegel der Tonausgabe-
einheit auf den vorbestimmten Pegel erhöht
worden ist, und Senken des Ausgangspegels
der Tonausgabeeinheit auf einen ursprüngli-
chen Pegel, auf den die Tonausgabeeinheit ein-
gestellt war, bevor der Ausgangspegel der Ton-
ausgabeeinheit erhöht wurde, wenn der erfass-
te Ton mit dem erzeugten Impulssequenzton
identisch ist.

Revendications

1. Appareil d’imagerie par résonance magnétique
(IRM) comprenant:

une unité d’entrée sonore (157),
une unité d’émission sonore (114) conçue pour
émettre un son acquis par l’unité d’entrée sono-
re (157),
un organe de commande (113) conçu pour com-
parer le son acquis à un son produit par une
séquence d’impulsions correspondant à un mo-
tif de pilotage d’une unité de gradient de champ,
caractérisé en ce que l’organe de commande
est en outre conçu pour augmenter le niveau
d’émission de l’unité d’émission sonore (114)
lorsque le son acquis n’est pas identique au son
produit par la séquence d’impulsions, et
une base de données sonores de séquences
(115) conçue pour stocker des motifs de sons
respectivement produits pour une pluralité de
séquences d’impulsions enregistrées dans l’ap-
pareil d’IRM lorsqu’un sujet (200) subit une IRM
conformément à au moins une des séquences
d’impulsions.

2. Appareil d’IRM selon la revendication 1, caractérisé
en ce que, lorsque le son acquis est identique au
son produit par la séquence d’impulsions, l’organe
de commande (113) abaisse le niveau d’émission
de l’unité d’émission sonore (114) à un niveau pré-
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déterminé.

3. Appareil d’IRM selon la revendication 1 ou 2, carac-
térisé en ce que l’organe de commande (113) vérifie
une séquence d’impulsions servant à l’IRM d’un su-
jet, reçoit un son produit dans l’ouverture par l’unité
d’entrée sonore (157), compare le son reçu à un son
produit par la séquence d’impulsions vérifiée, et aug-
mente le niveau d’émission de l’unité d’émission so-
nore à un niveau prédéterminé lorsqu’un motif du
son reçu n’est pas identique à un motif du son produit
par la séquence d’impulsions vérifiée.

4. Appareil d’IRM selon l’une quelconque des revendi-
cations 1 à 3, caractérisé en ce que, lorsqu’un motif
du son acquis n’est pas identique à un motif du son
produit par la séquence d’impulsions, l’organe de
commande (113) élimine du son acquis une partie
correspondant au son produit par la séquence d’im-
pulsions, augmente le niveau d’émission de l’unité
d’émission sonore à un niveau prédéterminé, et
émet le son duquel le son produit par la séquence
d’impulsions a été éliminé, grâce à l’unité d’émission
sonore (114) dont le niveau d’émission avait aug-
menté au niveau prédéterminé.

5. Appareil d’IRM selon l’une quelconque des revendi-
cations 1 à 4, caractérisé en ce que, lorsqu’un motif
du son acquis n’est pas identique à un motif du son
produit par la séquence d’impulsions, l’organe de
commande (113) élimine du son acquis une partie
du son acquis correspondant au son produit par la
séquence d’impulsions, et détermine si le son duquel
le son produit par la séquence d’impulsions a été
éliminé est identique à la voix du sujet, augmente le
niveau d’émission de l’unité d’émission sonore à un
niveau prédéterminé si le son duquel le son produit
par la séquence d’impulsions a été éliminé est iden-
tique à la voix du sujet, et émet le son duquel le son
produit par la séquence d’impulsions a été éliminé,
grâce à l’unité d’émission sonore (114) dont le ni-
veau d’émission avait augmenté au niveau prédé-
terminé.

6. Appareil d’IRM selon l’une quelconque des revendi-
cations 1 à 5, caractérisé en ce que, lorsque l’or-
gane de commande (113) détermine qu’un motif du
son acquis est identique à un motif du son produit
par la séquence d’impulsions après augmentation
du niveau d’émission de l’unité d’émission sonore
(114), l’organe de commande (113) abaisse le ni-
veau d’émission de l’unité d’émission sonore à un
niveau d’origine auquel l’unité d’émission sonore
avait été réglée avant que le niveau d’émission de
l’unité d’émission sonore n’augmente.

7. Procédé de commande d’un appareil d’imagerie par
résonance magnétique (IRM), comprenant:

la comparaison d’un son acquis par une unité
d’entrée sonore à un son produit par une sé-
quence d’impulsions;
caractérisé par une augmentation du niveau
d’émission d’une unité d’émission sonore à un
niveau prédéterminé lorsque le son acquis n’est
pas identique au son produit par la séquence
d’impulsions ; ladite comparaison du son acquis
au son produit par la séquence d’impulsions et
stocké par avance comprend : la réception d’un
son produit dans une ouverture par l’unité d’en-
trée sonore ; la détermination d’un son produit
par la séquence d’impulsions devant être com-
paré au son reçu ; et la comparaison du son reçu
au son déterminé produit par la séquence d’im-
pulsions.

8. Procédé de commande selon la revendication 7,
comprenant en outre l’abaissement du niveau
d’émission de l’unité d’émission sonore à un niveau
prédéterminé lorsque le son acquis est identique au
son produit par la séquence d’impulsions.

9. Procédé de commande selon la revendication 7 ou 8,
caractérisé en ce que la comparaison du son ac-
quis au son produit par la séquence d’impulsions et
stocké par avance comprend:

la réception d’un son produit dans une ouverture
par l’unité d’entrée sonore,
la détermination d’un son produit par la séquen-
ce d’impulsions à comparer au son reçu, et
la comparaison du son reçu au son déterminé
produit par la séquence d’impulsions.

10. Procédé de commande selon la revendication 7, ca-
ractérisé en ce que l’augmentation du niveau
d’émission de l’unité d’émission sonore au niveau
prédéterminé comprend:

la détermination du fait que le son acquis est
identique au son produit par la séquence d’im-
pulsions;
l’élimination, hors du son acquis, d’une partie du
son acquis correspondant au son produit par la
séquence d’impulsions lorsqu’un motif du son
acquis n’est pas identique à un motif du son pro-
duit par la séquence d’impulsions; et
l’augmentation du niveau d’émission de l’unité
d’émission sonore à un niveau prédéterminé
afin d’émettre le son duquel le son produit par
la séquence d’impulsions a été éliminé.

11. Procédé de commande selon l’une quelconque des
revendications 8 à 10, caractérisé en ce que l’aug-
mentation du niveau d’émission de l’unité d’émission
sonore au niveau prédéterminé comprend:
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la détermination du fait que le son acquis est
identique au son produit par la séquence d’im-
pulsions,
l’élimination, hors du son acquis, d’une partie du
son acquis correspondant au son produit par la
séquence d’impulsions lorsque le motif du son
acquis n’est pas identique à un motif du son pro-
duit par la séquence d’impulsions,
la détermination du fait que le son duquel le son
produit par la séquence d’impulsions a été éli-
miné est identique à la voix du sujet stockée par
avance, et
l’augmentation du niveau d’émission de l’unité
d’émission sonore à un niveau prédéterminé
lorsque le son duquel le son produit par la sé-
quence d’impulsions a été éliminé est identique
à la voix du sujet, afin d’émettre le son duquel
le son produit par la séquence d’impulsions a
été éliminé.

12. Procédé de commande selon l’une quelconque des
revendications 8 à 11, comprenant en outre
la détermination du fait que le son acquis est identi-
que au son produit par la séquence d’impulsions
après augmentation du niveau d’émission de l’unité
d’émission sonore au niveau prédéterminé, et
l’abaissement, lorsque le son acquis est identique
au son produit par la séquence d’impulsions, du ni-
veau d’émission de l’unité d’émission sonore à un
niveau d’origine auquel l’unité d’émission sonore
avait été réglée avant que le niveau d’émission de
l’unité d’émission sonore n’augmente.
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